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ABSTRACT 


Modular  DC  Zonal  Electrical  Distribution  (DC  ZEDS)  offers  advantages  in  both 
cost  and  weight  over  traditional  radial  shipboard  distribution.  In  order  to  equip  the 
next  class  of  surface  combatant  with  DC  ZEDS,  preparative  research  includes  the 
design  of  autonomous  dc-to-dc  power  converter  modules  having  robust  load  sharing 
capability.  This  thesis  examines  the  combined  utility  of  current-mode  switch  control 
and  frequency-based  load  sharing  to  promote  equal  load  sharing  among  parallel  dc-to- 
dc  converter  modules. 

Current-mode  control  with  frequency-based  load  sharing  is  analyzed  primarily 
with  digital  simulation.  To  that  end,  a  state-space  representation  for  a  system  of  two 
converters  and  an  Advanced  Continuous  Simulation  Language  (ACSL)  simulation  for 
a  system  of  three  converters  are  developed.  Various  studies  were  conducted  to 
evaluate  the  performance  of  a  proposed  system  for  load  sharing  performance  between 
dissimilar  converters,  for  step  changes  in  load,  and  for  bringing  a  converter  off-line . 
Additionally,  a  sub-circuit  of  frequency-based  control — ^the  rms  frequency  estimation 
circuit —  was  built,  and  its  static  performance  evaluated.  Finally,  recommendations 
are  made  for  further  simulations  which  will  better  test  the  dynamic  performance  of 
this  rms  estimation  circuit  and  the  system  of  parallel  converters  employing 
frequency-based  load  sharing  as  a  whole. 
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I. 


PROJECT  BACKGROUND 


A.  RADIAL  DISTRIBUTION 

The  standard  paradigm  for  electric  power  distribution  aboard  Navy  ships  is  radial 
distribution.  With  this  scheme,  a  small  number  of  60  Hz  generators  located  throughout 
the  ship  supply  power  to  all  shipboard  loads  via  a  hierarchical  array  of  switchboards.  The 
distribution  system  in  any  ship  is  designed  to  survive  reasonably  expected  battle  damage, 
such  as  disabling  a  single  generator  or  large  distribution  switchgear.  Survivability  for 
loads  considered  vital  to  the  ship’s  mission  is  realized  by  powering  them  redvmdantly. 
Vital  loads  can  be  thought  of  as  the  merging  of  branches  from  hierarchical  trees  of  two 
separate  generators. 

Loads  in  each  physical  area  of  the  ship  are  generally  powered  by  local  power 
panels.  However  those  local  power  panels  receive  power  from  many  different  switchgear 
located  throughout  the  ship.  Many  such  local  power  panels  will  be  located  within  most 
watertight  sections  of  the  ship.  Sometimes  it  is  necessary  to  secure  power  to  a  group  of 
loads  in  close  physical  proximity,  say  to  isolate  a  watertight  compartment.  With  radial 
distribution  it  becomes  very  difficult  to  quickly  secure  power  to  them.  Further,  each  class 
of  ship  has  a  different  set  of  vital  loads  and  a  different  number  and  location  of  generators. 
Thus  it  is  virtually  impossible  to  standardize  radial  distribution  over  several  classes  of 
ships.  Also,  radial  distribution  systems  require  immense  manpower  efforts  to  operate  and 
maintain.  For  these  two  reasons,  an  alternative  to  radial  distribution  is  sought. 

B.  ZONAL  DISTRIBUTION 

An  alternative  is  zonal  distribution.  With  a  zonal  scheme,  two  redxmdant 
longitudinal  buses  are  fed  by  each  generator.  Both  buses  pass  through  a  number  of 
distribution  zones,  supplying  power  to  loads  within  each  of  those  zones.  Distribution 
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zones  will  most  logically  correspond  to  flooding  control  zones  divided  by  primary 
watertight  bulkheads.  The  strategy  for  separation  of  these  two  main  electrical  distribution 
buses  will  be  much  the  same  strategy  as  for  separation  of  the  shipboard  firemains — one 
above  and  one  below  the  waterline,  one  port  and  one  starboard,  minimizing  the  likelihood 
of  a  single  battle  damage  event  affecting  both  buses. 


PUN  VBff 


Figure  I-l  Conventional  Radial  vs.  Zonal  Distribution 

Therefore  zonal  distribution  is  simpler  than  radial.  The  effect  of  securing  faulty 
or  damaged  distribution  equipment  is  much  easier  to  predict.  Securing  power  to  a  region 
of  the  ship  is  straightforward.  Operators  trained  on  one  ship  using  zonal  distribution  will 
be  able  to  operate  the  zonal  distribution  system  of  another  ship,  even  a  ship  of  a  different 
class,  with  very  little  training.  An  additional  benefit  from  zonal  distribution  is  that  much 
less  cabling  is  required,  providing  considerable  weight  and  cost  savings  [1]. 


c. 


DC  ZONAL  DISTRIBUTION 


If  dc  instead  of  ac  transmission  lines  are  used  throughout  the  ship,  some 
significant  advantages  may  be  gained.  The  concept  of  dc  transmission  lines  used  in  a 
zonal  distribution  system  is  referred  to  in  this  thesis  as  DC  Zonal  Electrical  Distribution 
System  (DC  ZEDS). 

In  the  DC  ZEDS  proposed  for  use  aboard  naval  surface  combatants,  power 
generated  by  each  three-phase  ac  generator  is  rectified  by  a  Phase-Controlled  Rectifier 
(PCR).  This  dc  power  firom  each  PCR  is  then  fed  to  one  or  both  main  longitudinal  buses. 
Inside  each  zone,  power  is  tapped  off  both  longitudinal  buses  by  at  least  one  Ship  Service 
Converter  Module  (SSCM)  per  bus.  The  SSCM  is  a  solid-state,  dc-dc  buck  converter 
which  steps  the  longitudinal  bus  voltage  down  to  a  lower  zone  voltage.  This  dc  power  at 
the  zonal  voltage  level  is  then  distributed  to  Ship  Service  Inverter  Modules  (SSIMs)  and 
SSCMs  within  the  distribution  zone,  each  powering  an  ac  or  dc  bus  respectively. 
Individual  loads  which  are  considered  vital  will  be  powered  by  two  or  more  SSIM  or 
SSCM  modules  in  parallel. 

The  DC  ZEDS  offers  several  advantages  over  ac  zonal  distribution.  First, 
paralleling  loads  is  straightforward  when  both  power  supplies  are  dc.  Only  the  voltage 
must  be  matched.  A  pair  of  coordinated  SSCMs  can  be  easily  configured  to  provide 
uninterrupted  power  to  a  load  as  long  as  one  longitudinal  bus  has  power.  It  is  ultimately 
desired  that  a  pair  of  converters  powered  firom  opposite  main  buses  will  supply  power 
equally  to  a  single  vital  load. 

Second,  variable  speed  ac  motor  control  is  readily  achievable  with  DC  ZEDS. 
Variable  speed  control  allows  for  more  efficient  operation  of  large  ac  motors,  such  as 
those  powering  pumps  and  ventilation  fans,  than  does  constant-speed  control  used  in  the 
current  ac  distribution  system. 

Third,  weight  and  space  usage  may  both  be  reduced  when  DC  ZEDS  is  used 
because  the  number  of  power  conversion  stages  may  be  reduced.  For  example,  steady  dc 


3 


power  for  some  shipboard  systems  is  supplied  from  400  Hz  ac.  If  steady  dc  power  were 
readily  available  as  it  is  in  a  DC  ZEDS,  then  ac  power  would  never  have  to  be  generated 
as  an  intermediate  step. 

A  DC  ZEDS  shows  many  other  advantages  over  ac  radial  distribution.  In  a  DC 
ZEDS,  a  large  number  of  transformers,  breakers,  motor  controllers  are  replaced  by  fewer 
and  smaller  solid-state  power  converters.  Generator  frequency  is  decoupled  from 
frequency  requirements  of  individual  ac  loads.  This  allows  optimizing  generator/rectifier 
combinations  for  size  and  cost  and  facilitates  operation  of  the  prime  mover  at  its  most 
efficient  speed. 

A  disadvantage  of  DC  ZEDS  is  that  the  current  state  of  semiconductor  technology 
limits  the  bus  voltage  to  1500V  to  2000V  because  of  the  Insulated  Gate  Bipolar  Junction 
Transistors  (IGBTs)  and  MOS  Controlled  Thyristors  (MCTs)  used  in  SSCMs.  A  very 
high  bus  voltage  is  desired  because  it  will  minimize  current,  and  thus  minimize  the  size 
of  the  conductors  required.  However,  a  higher  voltage  introduces  safety  concerns  and 
isolation  issues  with  the  SSCMs.  Future  advances  in  semiconductor  technology  promise 
to  provide  higher  allowable  device  operating  voltages  if  required.  Another  small 
disadvantage  to  DC  ZEDS  is  that  shore  power,  supplied  typically  as  450  V,  three-phase 
ac,  must  be  rectified  and  converted  to  the  dc  bus  voltage. 

D.  POWER  ELECTRONIC  BUILDING  BLOCK 

The  Office  of  Naval  Research  sponsors  the  Power  Electronic  Building  Block 
Program  for  design  of  standard  modular  power  conversion  devices.  Such  standardization 
in  power  electronics  will  reduce  power  system  design  to  a  task  of  selecting  appropriate 
modules.  A  Power  Electronic  Building  Block  (PEBB)  is  generally  a  universal  power 
processor  which  changes  any  electrical  power  input  to  any  desired  form  of  voltage, 
current  and  frequency  output.  A  PEBB  in  the  context  of  DC  ZEDS  is,  say,  an  SSIM  or 
SSCM  which  maintains  constant  output  conditions  regardless  of  the  load  or  the  number 
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of  redundant  parallel  modules.  A  PEBB  module  consists  of  a  power  section,  a  controller 
section,  and  current  or  voltage  sensors. 

E.  DC  ZEDS  AND  PEBB  RESEARCH  AT  NFS 

A  number  of  Naval  Postgraduate  School  theses  in  recent  years  have  investigated 
DC  ZEDS  and  PEBB  issues.  A  brief  overview  of  those  efforts  in  order  of  thesis 
completion  follows. 

•  A  detailed  SIMULINK  model  of  a  portion  of  a  shipboard  electric  distribution 
system  was  developed  in  order  to  investigate  control  of  a  three-phase 
synchronous  generator  [2]. 

•  Constant  power  characteristics  of  a  DC  ZEDS  were  investigated  with  reduced- 
order  dc-dc  converter  models.  From  these  PSPICE  models,  observations  were 
made  concerning  stability  and  controllability  [3]. 

•  A  method  for  using  the  Advanced  Continuous  Simulation  Language  (ACSL) 
built-in  algebraic  solver  which  neither  relied  upon  reformulated  machine 
representations  nor  introduced  fictitious  circuit  components  was  developed 
[4]. 

•  Work  was  begun  on  detailed  ACSL  modeling  of  dc-dc  buck  switching 
converter  and  a  three-phase  inverter.  Closed-loop  algorithms  for  buck 
converters  were  investigated,  and  hardware-in-the-loop  studies  conducted 
using  a  dSPACE  card  in  order  to  validate  computer  models  [5]. 

•  A  detailed  ACSL  simulation  containing  a  steam  turbine-driven  synchronous 
machine,  rectifier,  filter,  and  buck  converters  was  developed.  This  ACSL 
model  was  used  to  identify  paralleling  issues  [6]. 

•  The  closed-loop  buck  converter  algorithm  was  significantly  advanced  [7]. 

•  A  detailed  ACSL  representation  of  an  Auxiliary  Resonant  Commutated  Pole 
(ARCP)  Inverter  was  developed  [8]. 


5 


•  The  one-cycle  control  algorithm  for  a  buck  converter  was  considered  and 
implemented.  Comparisons  were  made  between  the  hardware  and  computer 
representation  [9]. 

•  Design  and  fabrication  of  several  buck  converter  power  sections  were 
documented  [10]. 

•  A  voltage-mode  buck  controller  was  designed,  along  with  the  required  gating 
circuitry.  The  associated  analog  hardware  was  built  and  documented  [11]. 

•  PEBB  testbed  interconnecting  dc-dc  and  dc-ac  converters  was  fabricated. 

This  testbed  was  intended  to  simulate  various  configurations  of  SSCM  and 
SSIM  modules.  Hardware  studies  investigating  transient  response  of  the 
testbed  in  a  few  different  configurations  were  designed  and  performed  [12]. 

•  The  operation  of  the  Programmable  Universal  Controller  (PUC) — ^an  in-house 
programmable  DSP  controller — ^was  documented  and  the  closed-loop 
algorithm  for  the  buck  controller  was  programmed  and  validated. 

Additionally  an  approach  for  implementing  closed-loop  control  of  ARCP 
inverters  was  suggested  [13]. 

•  Closed-loop  ARCP  algorithms  were  implemented  using  the  PUC  [14]. 

F.  THESIS  GOALS 

This  thesis  explores  design  aspects  of  a  switching  controller  which  provides 
robust  load  sharing  among  an  arbitrary  number  of  dc-dc  converters.  This  controller 
should  support  the  PEBB  concept  by  requiring  no  control  interconnections  between 
paralleled  umts.  A  method  called  firequency-based  load  sharing  is  investigated  to  assess 
its  utility  for  DC  ZEDS  implementation.  In  addition  to  investigating  this  frequency- 
based  load  sharing  control,  this  thesis  also  briefly  explores  the  relative  merits  of  current¬ 
mode  and  pulse-width-modulation  (PWM)  control  with  parallel  converter  operation. 
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G.  CHAPTER  OVERVIEW 


Chapter  II  outlines  pulse-width-modulation  (PWM)  and  current-mode  switch 
control,  showing  the  relative  benefits  of  each.  Chapter  II  also  includes  a  discussion  of 
some  strategies  for  the  designing  a  switch  controller  for  load  sharing.  Among  the 
strategies  compared  is  a  new  method  known  as  frequency-based  load  sharing. 

With  that  groundwork  established,  Chapter  III  explores  design  considerations  for 
a  simple  estimation  circuit  which  is  a  component  of  a  switch  controller  employing 
frequency-based  load  sharing.  Chapter  IV  docmnents  the  mathematical  derivation  of  the 
models  used  for  analysis  and  simulation.  Finally,  Chapter  V  discusses  simulation  results 
and  Chapter  VI  states  conclusions  and  recommends  further  related  research. 
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II.  BUCK  CONVERTER 


A.  POWER  SECTION 

The  bulk  of  this  thesis  deals  with  development  of  a  switch  controller  for  a  dc-dc 
converter  with  good  load  sharing  properties.  The  following  section  discusses  the  buck 
converter  power  section  which  the  controller  will  regulate. 

1.  Specifications 

The  analysis  and  simulations  in  this  thesis  are  performed  assuming  9  kW  buck 
converter  modules.  Reference  output  voltage  (F„f)  is  300  V,  and  nominal  input  voltage  is 
(VJ  400V.  This  combination  of  V„f  and  Fi„  yields  a  steady  state  duty  ratio  (D)  of  0.75. 
The  switching  frequency  (4)  is  selected  to  be  20  kHz,  resulting  in  a  switching  period  (TJ 
of  50  ps.  Starting  with  these  specifications,  the  next  section  highlights  critical  inductance 
and  capacitance  derivations  for  the  system  used  in  the  subsequent  analysis  and 
simulation. 


2.  Critical  Inductance 

Critical  inductance,  or  the  minimum  inductance  for  continuous  conduction  mode 
[15],  is  given  by 

(2-1) 

where  is  ih®  resistance  below  which  continuous  conduction  mode  is  maintained 
(100  Q).  Continuous  conduction  mode  for  loads  above  10%  rated  is  desired,  thus  is 
625  pH.  Since  it  is  available  in  the  Power  Systems  Laboratory,  the  actual  inductor  value 
assumed  is  760  pH. 
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3.  Capacitance 


Experience  has  shown  that  capacitor  selection  is  constrained  by  two  design 
considerations,  voltage  ripple  and  control  effort.  Capacitor  selection  to  meet  the  ripple 
criterion  as  developed  by  Fisher  [15]  is  given  by  the  expression 


C  = 


(2-2) 


where  AVq  is  peak-to-peak  capacitor  voltage  ripple,  and  (4i„  - is  the  inductor 
current  envelope.  The  expression  for  (7^j„  - 


(2-3) 


also  derived  by  Fisher  [15],  yields  equal  to  6A.  The  maximum  desired  peak- 

to-peak  ripple  is  1%,  or  3V.  Thus  minimum  capacitance  to  meet  the  ripple  criterion  is 
12.5  pF. 

No  closed-form  expression  exists  for  the  second  capacitor  design  criterion, 
controller  effort.  Simulations  using  pulse-width-modulation  (PWM)  switching  control 
have  shown  that  a  much  larger  capacitor  than  is  necessary  to  limit  ripple  voltage  is 
required  to  prevent  the  PWM  control  effort  from  reaching  its  limits.  A  400  pF  capacitor 
was  used  successfully  in  PWM  simulation  and  hardware  and  is  used  in  the  analyses 
which  follow  as  well. 


4.  Load  Network  for  Parallel  Converters 

Given  the  inductor  and  capacitor  values  derived,  decisions  must  be  made 
regarding  how  the  system  of  parallel  converters  will  be  modeled.  Specifically  the  type  of 
load  impedance  and  connection  impedance  between  each  converter’s  output  and  the  node 
at  which  all  outputs  converge  must  be  specified. 

The  load  is  modeled  as  a  pure  resistance  in  the  simulations  in  this  thesis.  A 
resistive  load  is  a  gross  simplification  when,  realistically,  the  system  of  parallel 
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converters  may  well  power  an  inductive  load  such  as  an  inverter-driven  motor,  but  this 
simplification  was  seen  as  allowable  in  this  thesis,  whose  purpose  is  solely  to  explore 
controller  design.  Connecting  impedances  are  generally  modeled  as  a  transmission  line. 
In  the  context  of  DC  ZEDS  however,  connecting  cables  within  a  zone  will  be  relatively 
short,  thus  will  have  negligible  effects  from  inductance.  Also,  the  shunt  capacitance  will 
be  very  small  and  may  be  ignored.  Thus  transmission  line  impedance  will  be  modeled  as 
purely  resistive.  The  power  section  for  three  parallel  converter  modules  is  illustrated  in 
Figure  II-l. 

It  should  be  noted  that  placing  several  buck  converters  in  parallel,  each  with 
minimal  output  cable  impedance,  will  have  the  same  effect  as  placing  each  of  the 
capacitors  from  that  many  converters  in  parallel.  If  the  output  capacitance  is  400  |aF  for 
one  converter,  the  output  capacitance  will  be  close  to  1200  pF  with  three  of  those  units 
placed  in  parallel.  This  significantly  complicates  the  control  problem  because  controller 
gains  are  dependent  upon  a  constant  value  of  the  capacitance,  and  changing  the  effective 
capacitance  by  placing  multiple  units  in  parallel  makes  the  controllers  behave  differently 
depending  on  how  many  parallel  units  there  are.  Nevertheless  we  want  to  design  the 
converter  modules  with  their  own  integral  capacitors  in  order  to  support  the  PEBB 
modularity  concept. 
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Buck  Converter  Module  113 


Load  Network 


Figure  II-l  Power  Section  Schematic 


B.  SWITCH  CONTROLLER 

The  power  section  as  described  may  be  fitted  with  any  of  a  number  of  types  of 
switch  controllers.  PWM  and  current-mode  control  switching  techniques  are  compared  in 
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the  following  pages.  Both  control  methods  considered  commonly  use  constant  switching 
frequency,  which  is  also  assumed  in  the  previous  and  C  derivations. 

1.  Pulse- Width-Modulation 

The  classical  switch  control  method  is  pulse- width-modulation  (PWM),  also 
known  as  duty-ratio  programming.  The  following  discussion  describes  PWM  by 
revealing  the  working  of  the  switch  controller  blocks  illustrated  in  Figure  II- 1.  To  that 
end,  Figure  II-2  shows  the  three  components  of  the  generic  PWM  switch  controller:  the 
PWM  Control  Unit,  the  Comparator,  and  the  Switch  Drive  Unit. 


s 


L 


i  D 


C 


Figure  11-2  PWM  Switch  Controller  Details 


a)  PWM  Control  Unit 


The  PWM  control  unit  shown  uses  multiloop  control.  That  controller 
shown  in  Figure  II-3  realizes  the  algorithm 


d*  = 


+  K  (^«/  -  hj,  -yc)  +  K  l^ref  -  KK  -  Vc  )c*  +  /l, (ij,  -  i J ,  (2-4) 
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which  is  an  expression  for  commanded  duty  ratio  (d*).  This  algorithm  realizes  PID 
control  on  capacitor  voltage.  The  h,(ii  -  O  term  is  an  equivalent  derivative  term.  [16] 
This  algorithm  also  includes  a  droop  feature.  Droop  is  discussed  later  in  this  chapter  and 
is  represented  in  the  above  algorithm  by  the  (V„f  -  term. 


b)  Comparator  and  Switch  Drive  Unit 

The  PWM  control  unit  from  Figure  II-3  generates  d*,  which  is  compared 
to  a  sawtooth  wave.  Figure  II-4  illustrates  the  two  compared  signals  and  the  comparator 
output.  Notice  that  d*  is  constrained  to  the  range  zero  to  one.  Theoretically,  a  duty  ratio 
equal  to  zero  means  that  the  switch  stays  off  and  a  duty  ratio  equal  to  one  means  that  the 
switch  stays  on.  The  sawtooth  must  stay  in  the  range  zero  to  one  as  well. 
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If  both  signals  stay  in  the  proper  range,  the  pulse  train  ou^ut  from  the 
comparator  will  have  a  duty  ratio  equal  to  the  commanded  signal.  This  pulse  train  output 
from  the  Comparator  is  then  fed  into  the  Switch  Drive  Unit,  which  converts  logical  pulses 
into  pulses  that  the  particular  semiconductor  switch  can  accept.  Note  that  the  pulse  train 
output  from  the  controller  is  indicated  by  the  shaded  time  slices  in  Figure  II-4.  Shaded 
areas  are  the  times  when  the  pulse  is  a  logical  zero,  and  non-shaded  times  are  when  the 
pulse  is  a  logical  one. 


Figure  II-4  PWM  Switch  Control 

PWM  is  well  understood  and  the  state-space  model  derivation  is 
straightforward.  With  PWM  control,  two  state-space  models  are  applicable  to  the  system, 
one  for  when  the  switch  is  on  and  one  when  it  is  off.  These  two  models  may  be  easily 
collapsed  to  a  single  averaged  model  which  removes  switching  dynamics  but  otherwise 
accurately  describes  the  system  as  long  as  the  inductor  current  remains  continuous.  [15] 

2.  Current-Mode 

Current-mode  switch  control  is  now  introduced  and  compared  to  PWM  switch 
control.  A  block  diagram  of  one  possible  current-mode  implementation  of  the  Switch 
Controller  is  shown  in  Figure  II-5.  The  Switch  Controller  consists  of  five  components: 
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the  Current-Mode  Control  Unit,  Slope  Compensation,  Comparator,  Switch  Drive  Unit, 
and  Clock. 


Figure  II-5  Current-Mode  Switch  Controller  Details 


a)  Current-Mode  Control  Unit 

The  Current-Mode  Control  Unit  performs  the  same  function  as  the  PWM 
Control  Unit.  Namely,  it  generates  a  reference  current  signal  using  F„f  and  various 
feedback  signals.  Figure  II-6  illustrates  a  simple  Current-Mode  Control  Unit.  This 
controller  realizes  PI  control  on  the  voltage  error,  -  Vc-  The  Current-Mode  Control 
Unit  output  signal  is  the  commanded  inductor  current.  The  algorithm  realized  by  the 
controller  is 

i*  =  K  l^ref  -^c)dt  +  K  K/  -  Vc  )•  (2-5) 
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Vc 

Figure  II-6  Simple  Current-Mode  Control  Unit 


b)  Slope  Compensation 

Figure  II-7  shows  the  commanded  inductor  current  i*  and  the  actual 
inductor  current  II  for  one  switching  period.  Both  i*  and  II  are  comparator  inputs.  At  the 
start  of  the  switching  period,  z'l  is  increasing  because  the  switch  is  closed.  The  switch  is 
opened  when  z'l  reaches  i*.  At  this  time  4  begins  to  decrease  as  the  free-wheeling  diode 
conducts  the  current.  Of  course,  4  rises  and  decays  exponentially  due  to  any  parasitic 
resistance.  Since  the  time  constant  of  this  decay  is  much  longer  then  ,  inductor  current 
4  transients  are  represented  as  straight  lines. 


Fi^re  11-7  Current-Mode  Comparator  Inputs  Without  Slope  Compensation 
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Notice  in  Figure  II-7  that  when  a  perturbation  causes  to  be  abnormally 
high  at  the  start  of  one  switching  period,  \  will  be  low  at  the  start  of  the  next  switching 
period.  The  dashed  i'l  plot  in  Figure  II-7  shows  such  a  perturbation.  It  can  be  shown  that 
for  one  switching  period,  the  relationship  between  input  perturbation  magnitude  A/j„  and 
output  perturbation  magnitude  A/,  is 


A/.= 


D 


\-D 


M  , 

in  ’ 


where  D  is  the  steady-state  duty  ratio.  Therefore  after  n  switching  periods,  the 
relationship  between  A4  and  output  perturbation  magnitude  A/„  is 


(2-6) 


A/  =  - 


D  Y 


\-D 


A/,.„. 


(2-7) 


This  equation  may  also  be  written  in  terms  of  the  rising  z’l  slope  m^  and  the  falling  z’l  slope 
W2  as  follows. 


A/.  = 


\ 

From  Equation  (2-7)  it  is  apparent  that  for  D  greater  than  0.5,  the  perturbation  magnitude 
will  grow  over  n  switching  periods. 

To  provide  stable  current-mode  operation  for  any  value  of  D,  slope 
compensation  is  introduced.  As  illustrated  in  Figure  II-8,  slope  compensation  modifies 
the  commanded  current  i*  by  lowering  it  at  a  constant  rate  m.  This  modification  to  i*  is 
reset  to  zero  at  the  start  of  each  T^.  A  sequence  of  several  switching  periods  using  slope 
compensation  is  shown  in  Figure  II-9.  The  expression  relating  A4,  and  A/„  with  slope 
compensation  is 


A/,.. 


(2-8) 


A/. 


m^—m 


A/^ 


(2-9) 


Therefore  the  rate  at  which  /*  is  modified  directly  affects  the  duty  ratio 
below  which  perturbations  are  diminished.  The  ideal  case  is  when  the  modifying  slope  m 
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is  equal  to  nij  (the  rate  of  /l  decay  with  the  switch  open).  In  this  case,  as  shown  in  Figure 
II-8,  perturbations  are  eliminated  after  one  switching  period.  [17] 


Figure  11-8  Current-Mode  Comparator  Inputs  With  Slope  Compensation 


c)  Comparator  and  Switch  Drive  Unit 

Figure  II-9  shows  both  comparator  inputs  for  several  switching  periods, 
similar  to  Figure  II-4  in  the  PWM  ejq)lanation.  As  in  Figure  II-4,  shaded  areas  in  Figure 
n-9  indicate  times  when  the  comparator  ouft)ut  is  a  logical  zero,  and  non-shaded  areas 
indicate  times  when  comparator  ouq)ut  is  a  logical  one.  Again,  the  switch  drive  unit 
converts  logical  zero  and  one  pulses  into  pulses  which  will  trigger  the  particular 
semiconductor  switch. 
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i 


Figure  II-9  Current-Mode  Switch  Control 


d)  Clock 

The  clock  is  necessary  in  order  to  turn  the  switch  on  at  the  beginning  of 
every  switching  period.  Recall  that  with  PWM,  the  sawtooth  drops  below  the 
commanded  duty  ratio  signal  to  trigger  switch  turn-off.  With  current-mode  switch 
control  employing  slope  compensation,  commanded  and  actual  inductor  current  are  equal 
at  the  end  of  the  switching  period.  Therefore  their  comparison  cannot  be  used  to  trigger 
switch  tum-on.  Instead,  a  clock  is  used  to  turn  the  switch  on  every  switching  period.  The 
clock  pulses  must  also  be  fed  into  the  Slope  Compensation  circuit  in  order  to  reinitialize 
the  slope  to  zero  each  time  the  switch  is  turned  on. 

C.  CONTROLLER  DESIGN  FOR  LOAD  SHARING 

Load  sharing  among  converter  modules  is  implemented  by  each  converter  in 
parallel  forcing  its  output  current  to  be  close  to  some  commanded  value.  Such  a  function 
is  necessarily  part  of  each  converter’s  own  switch  controller.  Load  sharing  techniques 
differ  in  that  they  have  different  sources  for  the  commanded  value  of  current.  There  are 
essentially  two  possibilities  for  the  source  of  this  signal — ^intemal  to  the  converter  or  from 
some  outside  source.  Load  sharing  schemes  in  which  converters  are  fed  a  signal  from 
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some  outside  source  are  generally  known  as  centralized  control  since  it  is  a  central 
control  unit  that  will  generate  such  a  signal.  Load  sharing  schemes  in  which  the 
commanded  current  is  generated  from  within  each  power  module  are  known  as 
distributed  control. 

1.  Centralized  Control 

With  centralized  control,  a  central  unit  monitors  current  sensed  from  all 
converters’  output.  The  central  unit  then  passes  a  commanded  output  signal  to  all 
converters.  [18-20]  Centralized  control  works  well  but  has  a  few  drawbacks.  One 
drawback  is  that  if  an  additional  converter  is  placed  in  the  system,  the  central  unit  must 
receive  the  new  converter’s  sensed  signals  and  must  send  that  converter  the  commanded 
signal.  Therefore  centralized  control  is  incompatible  with  the  PEBB  concept  of  having 
multiple  converters  in  a  system  which  have  no  control  interconnections.  Another 
drawback  is  that  severing  either  the  sensing  lines  or  the  command  signal  lines  will  cause 
the  system’s  load  sharing  feature  to  fail  while  the  system  as  a  whole  continues  to  operate. 
Thus  system  behavior  is  unpredictable  in  the  event  of  a  casualty  when  centralized  control 
is  used. 

One  version  of  centralized  control  is  master-slave  load  sharing.  With  master- 
slave,  one  of  the  converters  acts  as  the  master,  sending  signals  to  other  converters  to  tell 
them  what  their  output  currents  should  be  [19, 21]. 

2.  Distributed  Control 

Distributed  control,  on  the  other  hand,  is  where  each  controller  knows  its  share  of 
current  with  no  external  signals  applied.  The  traditional  mechanism  for  distributed 
control  is  droop.  With  the  droop  method,  the  converter’s  ou^ut  voltage  is  set  based  on 
its  output  current.  When  several  converters  are  connected  in  parallel  they  will  all  have 
the  same  output  voltage.  Thus  their  currents  will  be  forced  to  be  equal  as  well.  If  one 
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unit’s  output  voltage  is  increased,  it  typically  assumes  a  larger  portion  of  the  output 
current.  Thus,  if  the  reference  voltage  is  decreased  as  the  output  current  is  increased,  a 
self-regulating  mechanism  is  put  in  place.  Thus  when  voltage  vs.  current  are  plotted,  the 
graph  is  the  familiar  “house  curve.”  [22-23] 

In  previous  research,  droop  was  shown  to  function  well  when  two  converters  are 
paralleled.  However,  load  sharing  performance  is  degraded  when  three  or  more 
converters  are  connected  in  parallel.  Droop  performance  can  be  improved  by  increasing 
the  voltage/current  slope  of  the  house  curve.  But  if  that  is  done,  voltage  will  vary  over  a 
potentially  unacceptable  wide  range. 

3.  Frequency-Based  Load  Sharing 

Perreault,  Selders,  and  Kassakian  from  MIT  suggest  a  new  approach  to  distributed 
control  which  they  call  frequency-based  control  [24].  They  suggest  that  if  each  controller 
for  a  series  of  dc-dc  converters  receives  an  estimate  of  the  average  output  current  from 
each  of  the  converter  modules  in  parallel,  including  its  own  output  current,  then  it  may 
compare  that  estimate  with  its  ovm  output  current  and  adjust  its  output  to  match  that  from 
the  other  modules.  This  method  is  new  because  the  current  estimate  is  a  frequency- 
domain  derived  signal. 

Perreault  proposes  three  possible  frequency-domain  mechanisms  by  which 
converters  may  communicate  their  output  current  [24].  In  the  first  method,  called  the 
output  perturbation  method,  a  small  sinusoidal  signal  is  superimposed  onto  the  output  of 
each  converter.  That  signal  has  a  frequency  corresponding  to  the  converter’s  own  ouqjut 
current.  Therefore  at  the  node  which  connects  the  parallel  modules,  the  voltage  will  be  a 
dc  level  plus  the  sinusoidal  components  from  each  of  the  converters. 

The  second  method,  which  they  call  isolated  single-connection,  uses  a  dedicated 
bus  to  convey  current  information,  and  not  the  power  output  cable.  The  third  method  is 
called  switching  ripple.  In  this  method,  switching  frequency  is  adjusted  corresponding  to 
the  converter’s  output  current.  In  PEBB  applications  with  a  fixed  switching  frequency. 
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these  latter  two  methods  are  unacceptable.  Thus  the  output  perturbation  method  is  most 
suitable. 

Therefore  when  the  ou^ut  perturbation  method  is  used,  each  converter  senses  its 
own  output  voltage,  and  jfrom  that,  it  analyzes  the  frequency  content  and  extracts  an 
estimate  of  the  average  frequency,  then  converts  that  to  a  current  estimate.  The 
perturbation  generator  is  a  simple  voltage-controlled-oscillator  (VCO). 

The  only  difficulty  with  this  new  load  sharing  approach  is  in  implementing  an 
algorithm  which  produces  an  estimate  of  the  average  frequency.  The  method  Perreault 
proposes  is  rms  estimation  [24]. 

Figure  II- 10  shows  a  block  diagram  of  the  hardware  implementation  of  a  current- 
mode  confroller  employing  frequency-based  load  sharing.  The  three  new  blocks  in  the 
diagram  are  the  Frequency  Estimator,  the  Perturbation  Generator,  and  the  Reference 
Voltage  Controller.  The  Output  Voltage  Controller  and  Cell  Power  Stage  are  similar  to 
the  Switch  Controller  and  Power  Section  as  shown  in  Figure  II- 1 . 


Figure  II-IO  Current-Mode  Controller  with  Frequency-Based  Load  Sharing  Block 

Diagram  from  Perreault 


These  three  new  components  will  be  briefly  discussed.  The  Reference  Voltage 
Controller  consists  simply  of  a  series  of  summing  circuits  which  adjust  according  to 
the  difference  between  0)^,^  and 
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The  Perturbation  Generator  produces  a  sinusoid  whose  frequency  is  a  function  of 
the  converter’s  inductor  current  or  of  commanded  inductor  current.  The  perturbation 
frequency  range  was  chosen  as  2  kHz  to  5  kHz.  This  range  was  chosen  such  that 
perturbation  frequencies  fell  well  below  the  switching  frequency  of  20  kHz,  and  above 
the  control  bandwidth  of  approximately  1  kHz.  The  2  kHz  minimum  perturbation 
frequency  corresponds  to  zero  commanded  inductor  current,  and  5  kHz  corresponds  to  the 
case  where  commanded  current  equals  the  converter’s  rated  output  current.  Viewing  the 
block  diagram  of  Figure  II- 10,  note  that  in  addition  to  generating  the  perturbation 
sinusoid  itself,  the  Perturbation  Generator  must  also  generate  a  signal  related  to  the 
perturbation  frequency.  The  Perturbation  Generator  is  a  relatively  simple  circuit, 
consisting  of  basically  a  VCO. 

Each  converter  senses  its  own  output  voltage  for  comparison  with  reference 
voltage  V„f.  As  discussed  previously,  voltage  oscillations  from  parallel  converters,  as 
well  as  from  the  local  converter,  are  present  at  the  local  converter’s  ouq)ut.  When 
connection  resistances  are  small,  the  magnitude  of  the  perturbations  from  parallel 
converters  is  attenuated  very  little,  and  the  frequency  content  of  is  a  good 
approximation  of  the  combined  output.  The  Frequency  Estimator  therefore  uses  the 
oscillations  on  the  sensed  Vc  signal  to  approximate  combined  output  voltage  perturbations 
from  zill  converters  and  generates  a  signal  related  to  the  combined  perturbation  frequency 
content.  Thus,  each  individual  converter  module  requires  no  external  sensors  for  load 
sharing.  The  Frequency  Estimator  is  the  heart  of  the  frequency-based  load  sharing 
scheme  as  proposed.  The  next  chapter  explores  this  component  in  greater  detail. 

The  block  diagrams  shown  in  this  chapter  have  been  nested.  Note  that  in  Figure 
II-l,  a  generic  switch  controller  is  shown  in  the  shaded  box.  Figure  II-5  shows  the  block 
diagram  for  that  switch  controller  when  current-mode  control  is  used.  The  Current-Mode 
Control  Unit  in  Figure  II-5  is  shown  as  a  shaded  box,  and  Figure  II-6  shows  a  block 
diagram  of  that  shaded  box.  Now,  Figure  II- 1 1  shows  an  alternative  to  Figure  II-6,  a 
Current-Mode  Control  Unit  which  uses  frequency-based  load  sharing.  This  block 
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diagram  in  Figure  II-l  1  is  similar  to  that  of  Figure  II-6.  The  following  chapter  explains 
the  contents  of  the  shaded  Frequency  Estimator  block  in  Figure  II-l  1 . 


Figure  II-ll  Current-Mode  Control  Unit  Employing  Frequency-Based  Load 

Sharing 
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III.  RMS  FREQUENCY  ESTIMATION  CIRCUIT 


A.  INTRODUCTION 


To  implement  frequency-based  load  sharing,  an  estimate  of  the  current  from  all 
converters  is  required.  Perreault  suggests  rms  estimation  using  a  simple  circuit  [24].  Part 
of  the  research  associated  with  this  thesis  involves  the  construction  of  an  analog  rms 
frequency  estimation  circuit  similar  to  that  described  in  [24].  This  circuit  replaces  the 
shaded  blocks  in  Figure  II-l 0  and  Figure  II-l  1 .  The  estimation  circuit  input  is  die 
converter  module’s  own  output  voltage.  Its  output  is  a  signal  related  to  the  frequency 
content  of  that  ouqiut  voltage.  The  rms  estimation  circuit  realizes  the  function 


rms 


_  ylcf(0ler>i+cl(0%n2 
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(3-1) 


where  co^,  and  co^  are  perturbation  frequencies  corresponding  to  the  three 
converters’  output  currents;  and  Cj,  C2,  and  C3  are  weighting  constants  for  each  frequency. 
These  constants  are  assumed  to  be  unity  when  the  perturbation  signals  from  each 
converter  have  equal  amplitude. 

The  proposed  rms  estimation  circuit  in  [24]  has  four  key  components.  A 
bandpass  filter  at  the  input  removes  frequencies  from  the  estimation  circuit  input  which 
do  not  contain  load  sharing  information.  That  is,  the  switching  frequency  should  be  well 
above  the  passband  and  the  control  dynamics  well  below  the  passband.  The 
Differentiator  converts  frequency  to  amplitude  information.  The  RMSDC  Circuit 
converts  a  sinusoidal  signal  into  a  dc  level  corresponding  to  the  amplitude  of  oscillation. 
The  Dividing  Circuit  normalizes  the  estimated  ouQ)ut  for  the  input  signal  amplitude. 
A  block  diagram  for  this  circuit  as  proposed  in  [24]  is  shown  in  Figure  III-l . 


27 


Figure  III-l  Frequency  Estimator  Block  Diagram  from  Perreault  Paper 


A  schematic  for  the  rms  estimation  test  circuit  is  shown  in  Figure  III-2.  The 
following  discussion  explains  the  design  of  each  sub-component. 


Figure  111-2  RMS  Frequency  Estimation  Test  Circuit  Schematic 


B.  TEST  CIRCUIT  CONSTRUCTION 


1.  Summing  Circuit 


The  Summing  Circuit  was  built  in  lab  to  simulate  the  output  iBrom  the  bandpass 
filter  in  the  actual  circuit.  The  Summing  Circuit  was  constructed  as  a  simple  operational 
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amplifier  (op-amp)  inverting  summer,  built  as  shown  in  Figure  III-2.  Input  signals  Vj^i 
and  were  sinusoids  of  0.01  V  amplitude. 

One  notable  characteristic  of  the  Summing  Circuit  is  that  the  amplitude  of  the 
output  waveform  has  a  maximum  amplitude  equal  to  twice  that  of  the  input  sinusoids.  Of 
course,  this  behavior  is  expected.  One  design  implication  is  that  the  signal  could 
potentially  be  greater  than  the  op-amp’s  15  V  supply  voltages  when  several  converters  are 
in  parallel.  That  would  cause  clipping  of  the  intermediate  signal  and  inaccuracy  of 
the  estimation  circuit  in  general. 

In  order  to  illustrate  the  characteristics  of  the  Summing  Circuit  just  discussed,  a 
mathematical  description  is  presented.  This  development  shows  that  the  ouqjut 
amplitude  is  expected  to  be  scaled  as  a  multiple  of  the  number  of  inputs.  Signals  applied 
to  Vjni  and  represented  by  Equations  (3-2)  and  (3-3). 

=  ^1  +  4  sin(fl),t  +  )  (3-2) 

A  sin(6>2t  +  ^2 )  (3-3) 

With  the  gain  of  each  channel  set  to  minus  one,  the  Summing  Circuit  output 
(Figure  III-2)  is  expressed  as  the  sum  of  Vj^i  and  V;^,  as  shown  in  Equation  (3-4).  The 
inverting  summer  introduces  minus  signs  into  the  expression. 

=  -^1  -^2 -A  sin(©,t  +  )  -  ^2  sinico^t  +  $2 )  (3-4) 

Since  the  Sirauning  Circuit  output  simulates  that  of  a  bandpass  filter,  DC  voltages 
Fj  and  F2  were  fixed  at  zero  in  the  lab.  Thus  the  Summing  Circuit  output  may  be 
expressed  as 

=  -A  sin(0it  +  0i)-A2  sin(<»2^  +  ^2 )  •  (3-5) 

2.  Differentiator 

The  function  of  the  Differentiator  is  key  to  operation  of  the  entire  rms  frequency 
estimation  circuit.  The  Differentiator  performs  a  linear  conversion  firom  frequency  to 
amplitude.  An  op-amp  Differentiator  also  scales  the  output  based  on  the  selection  of  Rj^ 
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and  Cq,  the  resistor  and  capacitor  values  illustrated  in  the  Differentiator  shown  in  Figure 
III-2.  Thus  the  differentiator — ^and  the  rms  estimation  circuit  as  a  whole — ^may  he  tuned 
so  that  the  output  is  scaled  appropriately  for  a  specific  range  of  input  frequencies. 

The  equation  governing  the  differentiator  is 

v^=-RC^.  (3-6) 

The  Differentiator  input  is  the  sum  of  sinusoids  from  Equation  (3-5).  When  is 
differentiated  and  multiplied  by  and  Cp,  the  Differentiator  output  is 

=  A^O)^R^Cj)  COS{(D^t  +  COS{0)2t  +  ^2  )  • 

Equation  (3-7)  therefore  shows  that  the  peak  differentiator  output  voltage 
amplitude  is  the  sum  of  the  input  sinusoid  amplitudes,  and  A2,  each  scaled  by  the 
constant  <oRi,Co.  For  the  test  circuit,  Rj^  was  chosen  as  33  kQ  and  as  1 .54  nF,  thus  the 

time  constant  R^Cj)  =  50.8  ps.  In  the  frequency  range  2  kHz  to  5  kHz,  the  angular 
frequency  range  of  a)  is  12,600  to  31,400  rad/sec.  The  corresponding  range  of  coR^C^  is 
0.6  (for  both  inputs  at  2  kHz)  to  1 .5  (for  both  inputs  at  5  kHz). 

Obviously  the  choice  of  and  Cp  allows  flexibility  in  matching  input  and  output 
signal  levels  for  the  Differentiator. 

3.  RMSDC  Circuit 

An  AD536A  performed  the  rms-to-dc  function  in  both  instances  in  the  circuit. 

Two  identical  RMSDC  Circuits  were  built  and  are  designated  A  and  B  in  Figure  III-2. 
Both  .(4  and  B  circuits  were  set  up  according  to  the  standard  configuration  suggested  in  the 
AD536A  datasheet,  which  is  in  Appendix  D,  Part  A.  It  was  found  that  trimming  neither 
the  scale  factor  (pin  1)  nor  the  offset  adjust  (pin  9)  provided  the  magnitude  of  coarse 
tuning  desired.  For  that  reason,  both  RMSDC  Circuits  were  constructed  using  the 
standard  setup  as  defined  in  the  AD536A  datasheet.  Scaling  and  offset  for  overall  circuit 
output  were  performed  at  the  Divider  Circuit  and  not  at  each  RMSDC  Circuit. 
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Capacitor  C^v  between  pins  4  and  14  acts  to  damp  the  output  response.  If  C^v  is 
too  low — on  the  order  of  0.1  pF — ^the  output  oscillates  even  when  input  signals  have  a 
constant  frequency.  If  C^y  is  to  high — on  the  order  of  40  pF — the  output  takes  too  long 
to  reach  equilibrium  following  a  change  in  input.  Thus  the  4  pF  recommended  by  the 
datasheet  is  a  conservative  value,  at  least  for  the  frequencies  of  concern  in  this  setup. 

4.  Dividing  Circuit 

RMSDC  Circuit  A,  which  is  driven  by  the  differentiator,  has  a  dc  output 
proportional  to  the  amplitude  of  the  input  oscillations.  RMSDC  Circuit  B  has  a  dc  output 
proportional  to  the  input  sinusoid  amplitude  and  is  tmaffected  by  changes  in  input 
frequency.  The  Dividing  Circuit  realizes  mA-i-B  operation,  where  A  and  B  are  outputs 
from  RMSDC  Circuits  A  and  B  respectively.  This  function  normalizes  the  overall  circuit 
output,  completely  removing  output  signal  dependence  upon  input  signal  amplitude. 

Thus,  the  ou^ut  of  the  rms  frequency  estimation  circuit  is  a  function  only  of  the  input 
frequencies. 

An  AD534  was  configured  as  a  divider.  The  setup  as  shown  in  Figure  III-2  is 
different  than  that  recommended  by  the  datasheet,  which  is  in  Appendix  D,  Part  B.  The 
datasheet  configuration  was  not  used  because  it  produced  a  negative  ouq)ut  voltage 
through  the  range  of  inputs  expected  with  this  circuit.  The  discussion  that  follows 
provides  a  detailed  explanation  of  the  AD534  setup  as  implemented  in  the  test  circuit. 

The  AD534  has  three  inputs.  Each  input  is  defined  as  a  voltage  difference 
between  two  pins.  The  three  inputs  are  X (Fp;.,  -  V^,  Y -  V^^),  and  Z  (Fpi„,i  - 
Fpinjo).  The  AD534  is  governed  by  the  equation 

XxY=\(N^Z.  (3-8) 

When  the  AD534  output  is  tied  to  one  of  the  Y  pins,  as  in  Figure  ni-2  where  pins 
7  and  12  are  connected,  then  AD534  ouq>ut  is  proportional  to  Z  -s-  X  One  of  the  Z  pins 
(pin  11)  and  one  of  the  X  pins  (pin  2)  are  tied  to  ground.  The  ou^ut  from  RMSDC 
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Circuit  A  drives  Z  at  pin  10,  and  the  output  of  RMSDC  Circuit  B  drives  X  at  pin  1  to  such 
that  Z-^X  realizes  A  B.  Pin  6  is  driven  by  an  adjustable  voltage.  Adjusting  Fpi„6  with 
potentiometer  provides  a  zero  adjust  for  the  Dividing  Circuit  and  for  the  rms 
frequency  estimation  circuit  as  a  whole.  [24] 

The  AD534  output  driven  by  pin  12  is  on  the  order  of  10  V  and  may  be  too  high 
since  the  estimation  circuit  input  voltages  Vjn,  and  Vi„2  have  amplitude  on  the  order  of  10 
mV.  To  lower  the  output  voltage  without  any  loss  of  accuracy,  a  simple  voltage  divider 
scaling  is  used,  represented  by  (Figure  III-2).  Both  R2,  and  R^  should  be  chosen 
sufficiently  large  enough  to  limit  their  power  consumption  to  within  acceptable  limits. 

C.  CIRCUIT  TUNING 

The  rms  estimation  circuit  was  tuned  to  give  zero  output  with  all  inputs  at  the 
nominal  minimum  frequency  and  approximately  10  mV  output  with  all  inputs  at  the 
nominal  maximum  frequency.  Nominal  minimum  and  maximum  frequencies  were 
chosen  at  2  kHz  and  5  kHz  respectively.  They  were  chosen  to  lie  between  the  switching 
frequency  of  20  kHz  and  the  control  bandwidth  of  approximately  1  kHz. 

All  output  tuning  is  performed  at  the  Dividing  Circuit.  Resistor  R^  adjusts  the  dc 
zero  offset  and  R^  adjusts  the  output  scaling.  The  procedure  for  tuning  the  circuit  is  as 
follows: 

1 .  Set  all  input  frequencies  to  nominal  minimum. 

2.  Adjust  to  obtain  zero  volts  at  v^u,. 

3.  Set  all  input  frequencies  to  nominal  nnaYimiim 

4.  Adjust  R^  to  obtain  =  10  mV. 

The  output  value  of  10  mV  was  chosen  so  the  ouq)ut  will  have  the  same  order  of 
magnitude  as  the  input  signals.  The  rms  estimation  circuit  may  be  designed  to 
accommodate  any  reasonable  input  or  output  levels. 
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D.  CIRCUIT  PERFORMANCE 


Recall  that  the  rms  frequency  estimation  circuit  should  realize  Equation  (3-1). 
After  the  circuit  as  described  was  constructed,  tests  were  performed  to  investigate  how 
closely  the  test  circuit  output  Vo„,  follows  that  predicted  by  the  Equation  (3-1).  Static 
performance  was  analyzed  to  verify  that  the  steady-state  estimation  circuit  output  was 
indeed  a  function  of  the  input  frequencies  and  to  verify  that  the  ouqjut  was  as  predicted 
by  Equation  (3-1).  Dynamic  performance  is  also  touched  upon  briefly. 

1.  Static  Performance 

To  test  static  performance,  two  separate  sinusoidal  inputs  were  connected  to  the 
estimation  circuit,  each  with  an  amplitude  of  10  mV.  One  input  was  varied  from  2  kHz  to 
5  kHz  in  1  kHz  increments  while  the  other  input  was  varied  in  the  same  range  in  0.5  kHz 
increments.  Input  sinusoids  were  generated  by  two  separate  PM5 134  Function 
Generators.  Circuit  output  was  manually  recorded  at  each  data  point.  Output  voltage  was 
measured  using  a  Tektronix  2212  60  MHz  Digital  Storage  Oscilloscope,  using  that 
instrument’s  digital  readout. 

Recall  that  the  rms  estimator  test  circuit  was  tuned  for  a  V(,u,  of  zero  when  all  input 
sinusoids  were  2  kHz  and  for  10  mV  when  all  input  sinusoids  were  5  kHz.  Equation  (3- 
1)  does  not  predict  frequencies  in  this  range,  however.  The  range  of  angular  frequencies 
predicted  by  Equation  (3-1)  is  2  kHz  to  5  kHz.  Because  of  this  difference,  both  the  test 
circuit  data  and  the  theoretical  data  were  normalized.  After  normalization,  both  sets  of 
data  were  in  the  range  0  to  1,  which  allowed  the  two  sets  of  data  to  be  compared. 

Figure  111-3  shows  the  normalized  theoretical  data,  predicted  by  Equation  (3-1), 
and  the  normalized  ejqperimental  data  plotted  together.  Differences  between  the  two  sets 
of  data  are  easily  explained  by  the  fact  that  input  frequencies  may  not  have  been  exactly 
as  desired  because  the  digital  function  generators  were  adjusted  manually.  With  this 
source  of  error  considered,  the  two  sets  of  normali^  data  have  very  good  correlation.  It 
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may  be  concluded  Ifrom  this  static  performance  analysis  that  the  rms  estimation  circuit 
proposed  by  [24]  indeed  realizes  the  function  of  Equation  (3-1). 

It  should  be  noted  that  when  the  test  circuit  was  fed  two  inputs  of  essentially  equal 
frequency,  the  summing  circuit  produced  a  slowly  oscillating  standing  wave.  This 
standing  wave  had  the  effect  of  causing  the  estimation  test  circuit  output  to  oscillate 
slowly.  Theoretically,  the  same  effect  could  occur  with  two  nearly  identical  frequencies 
input  into  a  bandpass  filter.  This  standing  wave  should  not  be  observed  when  the 
estimation  circuit  is  placed  in  a  closed-loop  controller  because  the  output  from  the 
estimation  circuit  will  affect  converter  output.  Thus  if  controller  output  becomes  subject 
to  this  standing  wave  effect,  converter  output  current  vdll  be  altered,  changing  that 
converter’s  perturbation  frequency,  and  finally  making  the  two  perturbation  frequencies 
rmequal,  and  abating  the  standing  wave. 


Figure  111-3  Normalized  Theoretical  vs.  Experimental  Test  Circuit  Data 


2.  Dynamic  Performance 

No  quantitative  dynamic  analyses  were  performed  on  the  test  circuit.  However, 
some  remarks  may  be  made  regarding  qualitative  observations  of  the  circuit.  One  key 
observation  was  that  the  ouqjut  does  not  reach  equilibrium  instantaneously  upon  change 
in  the  input  frequency.  This  is  because  of  the  time  constant  associated  with  both  RMSDC 
Circuits.  Recall  that  capacitor  Cav  in  the  RMSDC  Circuits  controlled  the  time  constant- 
Too  small  a  value  of  Cav  caused  oscillation  and  too  large  a  value  of  Cav  slowed  the 
response  unnecessarily.  Therefore,  ^AV  must  be  chosen  to  satisfy  both  of  these 
conflicting  requirements. 
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E.  CONSIDERATIONS  FOR  DESIGN  AND  SIMULATION 


The  following  paragraphs  summarize  what  was  learned  by  evaluation  of  the  rms- 
to-dc  circuit  and  construction  of  the  test  circuit. 

The  output  from  the  bandpass  filter  has  amplitude  equal  to  the  amplitude  of  one 
input  sinusoid  scaled  by  the  number  of  parallel  converter  modules.  The  bandpass  filter 
should  be  designed  such  that,  given  the  amplitude  of  the  input  frequencies  in  the  range  of 
interest,  the  output  should  stay  well  within  the  power  supply  limits  (+15  V  to  -15  V  for 
example)  to  avoid  clipping. 

The  perturbation  frequency  range  and  amplitude  should  be  the  same  for  all 
converter  modules  in  parallel.  Even  converters  with  different  power  ratings  may  be 
paralleled  if  the  perturbation  frequencies  corresponding  to  maximiim  and  minimum 
current  are  the  same  for  all  parallel  converters. 

Even  though  the  output  perturbation  method  is  seen  as  the  most  useful 
implementation,  the  switching  ripple  method  is  a  good  option  if  variable  switching 
frequency  is  allowed.  With  the  switching  ripple  method,  recall  that  switching  frequency 
is  varied  according  to  the  converter  module  output  current.  An  obvious  advantage  with 
this  method  is  that  since  the  minimum  perturbation  frequency  is  much  higher,  control 
bandwidth  may  be  extended  as  well.  A  disadvantage  of  variable  switching  frequency  is 
that  it  produces  higher  switching  losses.  Soft  switching  may  be  required  to  bring 
switching  losses  down  to  an  acceptable  level,  especially  in  converters  rated  at  greater  than 
10  kW. 
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IV.  MATHEMATICAL  MODEL  DEVELOPMENT 


A.  APPROACH  TO  DIGITAL  SIMULATION 

Previous  chapters  explain  exactly  what  constitutes  a  current-mode  converter  with 
frequency-based  load  sharing.  The  next  two  chapters  document  the  development  of  a 
mathematical  representation  and  a  digital  simulation  of  a  system  of  three  such  converter 
modules  in  parallel.  The  following  list  briefly  outlines  the  required  steps  to  prepare  a 
digital  simulation  of  the  system  of  converters: 

•  Develop  a  state-space-averaged  model  for  the  converter  power  section. 

•  Devise  a  controller  algorithm,  with  gains  being  unknown  variables. 

•  Place  that  controller  algorithm  and  the  equations  governing  the  power  section 
behavior  into  state-space  form. 

•  From  that  state-space  model,  derive  the  characteristic  poljmomial  for  the 
entire  system  with  gain  variables  as  unknowns. 

•  Knowing  the  desired  system  characteristic  polynomial  (from  selected  pole 
locations),  solve  the  system  polynomial  for  controller  gains. 

•  Using  those  gain  values,  evaluate  the  system  performance  in  the  digital 
simulation. 

With  that  framework  established,  it  is  first  necessary  to  show  the  development  of 
the  controller  algorithm. 

B.  SINGLE  CONVERTER  GAIN  DERIVATION  EXAMPLE 

The  following  discussion  outlines  a  simple  example  using  the  derivation  steps 
listed  above.  A  state-space  model  for  a  single  cxirrent-mode  converter  is  ultimately 
derived. 
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To  start  the  derivation,  it  is  known  that  two  differential  equations  are  required  to 
represent  the  power  section  of  a  buck  converter:  One  for  the  capacitor  voltage  state 
variable  Vc  and  one  for  the  inductor  current  state  variable  z'l.  The  differential  equation 
governing  Vc  is 

C^  =  h-‘Lo  (4-1) 

where  4  is  the  averaged  inductor  current  and  z'ld  is  the  averaged  output  current.  As  a  first 
approximation,  the  differential  equation  for  the  state  variable  z^  may  be  neglected  when 
current-mode  switching  is  used.  Since  the  inductor  current  z'l  is  always  very  close  to  the 
commanded  current  /*,  the  state  variable  may  be  approximated  with  z*.  This 
approximation  reduces  the  order  of  the  resultant  state-space  model  and  does  not 
significantly  affect  system  response  [17].  Derivation  of  a  system  of  buck  converters 
which  includes  the  z’l  state  variable  is  explained  in  Appendix  A,  Part  A. 

The  starting  point  for  a  commanded  current  algorithm  is  to  use  the  simple 
algorithm  from  Equation  (2-5)  which  uses  no  load  sharing  mechanism.  That  algorithm 
again  is 

z*  =  h„  -Vc)dt  +  K  -  Vc  )•  (4-2) 

The  integral  term  implies  that  the  voltage  error  (F„f  -  Vc)  is  a  state  variable. 
Rewriting  Equation  (4-2)  to  separate  the  new  state  variable,  x,  yields  Equations  (4-3)  and 
(4-4). 


i*  =  h„x  +  hXv„/-Vc) 

(4-3) 

1 

li 

(4-4) 

Equations  (4-1),  (4-3)  and  (4-4)  therefore  describe  a  single  current-mode- 
converter.  Recall  that  when  the  assumption  that  Zl  =  z*  is  made,  the  expression  for 
commanded  current.  Equation  (4-3),  is  substituted  into  Equation  (4-1).  This  expanded 
expression  is 
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-1  K 


+x  -2-  +F. 


dt  \RC  C)  \^C)  "\C) 

The  two  first-order  differential  equations  from  Equations  (4-4)  and  (4-5)  are  now 
placed  into  state-space  form,  shown  in  Equation  (4-6). 

1  f-i  ^«irv  1  r^v 

-T.  ^  =  RC  C  C  ^  +  C  (4-6 

-1  oL^J  1 


C  Vnf 

1 


The  square  matrix  in  Equation  (4-6)  is  typically  referred  to  as  the  system  matrix 
A.  Its  eigenvalues,  denoted  by  X,  are  roots  of  the  characteristic  polynomial  ^47-  A|.  That 
characteristic  polynomial  is 

(  \  h\  (h\ 

— +  ^k+  -2-  =0.  (4-7) 

Uc  C)  [cj 

The  coefficients  of  this  polynomial  are  functions  of  the  current-mode  controller 
gains,  and  The  final  step  in  determining  numerical  values  for  these  gains  is  to  solve 
the  system  for  a  particular  desired  polynomial.  For  example,  desired  system  poles  -1000 
and  -800  give  the  characteristic  polynomial 

+ 1 8001  +  800,000  =  0 .  (4-8) 

To  calculate  gains  and  which  provide  system  response  identical  to  the 
system  with  the  characteristic  polynomial  given  by  Equation  (4-8),  the  coefficients  of  like 
powers  of  1  in  Equations  (4-7)  and  (4-8)  must  be  equal.  Thus  the  following  two 
expressions  apply. 


1800  = 


1  ,  K 

RC  C 


800, 000  = -2- 
C 


(4-10) 


Capacitance  C,  as  stated  earlier,  is  400  pF.  Load  resistance  R  at  full  load  is  10  Q. 
The  gains  are  found  to  be  ^  =  0.62  and  h,^  =  320.  The  Matlab  m-file  with  which  these 
gains  were  computed  is  shown  in  Appendix  B,  Part  A.  That  single-converter  model  may 
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be  used  to  calculate  gains  when  desired  poles  are  given  or  to  calculate  system  poles  when 
gains  are  given. 

C.  CONTROLLER  ALGORITHM  DERIVATION 


The  preceding  example  illustrates  the  basic  process  by  which  controller  gains  are 
calculated.  Complexity  will  now  be  added  to  the  model  discussed  previously,  and  the 
same  steps  taken  to  derive  controller  gains. 

At  the  outset  of  this  research,  it  was  desired  to  incorporate  frequency-based  load 
sharing,  as  introduced  by  [24],  into  a  PWM  switch  control  scheme.  All  converters 
constructed  to  date  in  the  DC  ZEDS  use  PWM  switch  control.  Adding  the  frequency- 
based  circuitry  to  the  existing  controller  framework  was  the  first  logical  step.  The 
controller  algorithm  therefore  would  be  similar  to  that  of  Equation  (2-4).  That 
commanded  duty  ratio  algorithm  for  a  PWM  controller,  employing  droop  load  sharing,  is 
repeated  in  Equation  (4-11)  for  convenience. 


V. 


+  K  i^rcf  -  hJo  -  Vc )  +  -  KK  -  Vc  )dt  +  0;  -  I'i  )  (4-1 1) 


V,. 


Droop  load  sharing  will  be  replaced  with  frequency-based  load  sharing.  When  the 
droop-related  terms  are  removed  from  this  algorithm  as  a  step  toward  adding  frequency- 
based  load  sharing,  the  equation  becomes 

d*  =  ^  +  K(y„y-Vc)  +  h„  -Vc)dt  +  h, (/„  - 1 J .  (4- 1 2) 

Adding  frequency-based  load  sharing  requires  modifying  in  proportion  to  the 

frequency  error  -  6)^^  .  Since  the  perturbation  frequency  is  a  linear  function  of 
commanded  inductor  current,  this  frequency  error  represents  current  error.  Incorporating 
such  a  term  into  the  algorithm  of  Equation  (4-12)  gives 
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(4-13) 


+  -  ^/  (®«,  -  ®pe«  )  -  -^C  )dt  +  K  {h  -  h  ) 

where  load  sharing  gain  is  yet  to  be  determined. 

A  digital  simulation  was  developed  for  two  converters  using  Equation  (4-13). 

That  simulation  showed  that  system  performance  with  unequal  connection  resistances 
was  unsatisfactory.  Each  converter’s  output  current  tended  to  oscillate  about  the  desired 
value  before  settling  after  a  transient.  It  was  speculated  that  this  oscillatory  behavior  was 
caused  by  the  fact  that  PWM  does  not  control  current  directly.  Because  of  these 
unsatisfactory  simulation  results,  the  research  effort  was  redirected  toward  an 
investigation  of  current-mode  control.  In  addition,  current-mode  control  was  employed 
in  Perreault’s  work. 

Perreault  [24]  does  not  recommend  any  particular  controller  algorithm.  A  suitable 
control  algorithm  was  needed.  It  was  decided  to  use  as  simple  an  algorithm  as  possible 
and  add  complexity  as  needed  to  correct  problems.  The  starting  point  for  choosing  an 
algorithm  is  the  control  law  introduced  in  Equation  (2-5).  That  algorithm  is  as  follows. 


i*  =  h„  -Vc)dt  +  h^ -  Vc ) 


(4-14) 


This  algorithm  implements  proportional-integral  (PI)  control  on  the  voltage  error. 
Integral  control  maintains  zero  steady-state  voltage  error.  Proportional  control  provides 
transient  stability.  Adding  frequency-based  load  sharing  to  this  algorithm  is 
accomplished  much  the  same  way  as  for  PWM  in  Equation  (4-13).  Reference  voltage 
is  modified  in  proportion  to  the  frequency  error.  The  resulting  algorithm  is 

i*  =  h„  -  hj  ((o^  -  (o^ )-  Vc  +  /i, (V^  -  /zy  )-  ).  (4-15) 

D.  TWO-CONVERTER  STATE-SPACE  DERIVATION 


With  this  control  algorithm  decided  upon,  the  next  step  is  to  put  the  entire  two- 
converter  system  into  state-space  form.  A  system  of  two  or  more  parallel  converters  must 
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be  represented  in  a  single  state-space  model  because  the  output  voltage  of  each  depends 
on  the  output  current  of  all  converters. 

Equation  (4-1)  governs  the  power  section  behavior,  as  in  the  single-converter 
model.  The  inductor  current  state  variable  z'l  is  neglected,  as  in  the  single-converter 
derivation.  The  only  change  is  that  two  converters  are  modeled  together,  and  that  the 
switching  control  algorithm  for  both  is  as  defined  in  Equation  (4-15).  Subscripts  are 
added  to  the  terms  in  the  following  derivations  to  distinguish  between  converter  1  and  2. 

Consider  a  two-converter  system  similar  to  the  three-converter  system  of  Figure 
II- 1.  Rewriting  Equations.  (4-1)  and  (4-15)  to  include  subscripts  and  to  include  the 
connection  resistances  network,  the  following  two  expressions  are  derived. 

„  dvr 


dt 


£L  =  i  _/ 
‘il  ‘ol 


(4-16) 


*1  ^pertl)  ^C1  ^vl  (^re/1  )“  ^C1 

Equation  (4-17)  is  rewritten  as  two  equations  to  separate  state  variable  x^,  as 
shown  in  Equations  (4-18)  and  (4-19). 

'i*  +KiKj,  )-Vc,)  (4-18) 

,)-Vc,  (4-19) 


dxj  _ 

dt 


‘^esl  ^ peril . 


Again  making  the  assumption  that  z'l*  =  4,,  4,  in  Equation  (4-16)  is  replaced  by 
the  expression  for  z'l*  of  Equation  (4-18).  Equation  (4-16)  rewritten  after  that  substitution 
is 


dt  C  '  ^  ^ peril  f  ci/  q 

Expressions  for  converter  2,  similar  to  those  in  Equations  (4-19)  and  (4-20)  for 
converter  1,  are 


(4-20) 


dx-^ 

It 


=  ^«/2-^/2(®«(-®per2)-Vc2 


(4-21) 
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d^C2^-K2^,K2_[v  -h  L  -6)  )-v  )-^ 

Z  ^  ^  Vre/2  "siWest  ^  peril  j  ^Cl)  ^  • 


dt  Cj  C 


(4-22) 


Considering  only  converter  1  in  the  derivation,  note  that  Equations  (4-19)  and  (4- 
20)  cannot  be  placed  into  state-space  form  because  neither  is  expressed  entirely  in  terms 
of  state  variables.  Converter  module  output  current  4i  and  the  frequency  error  - 
iOperti)  must  be  expressed  in  terms  of  state  variables  v^,  x,,  Vc2,  and  Xj.  Derivation  of  these 
quantities  is  presented  in  Appendix  A,  Parts  B  and  C.  The  resulting  expressions  are  as 


follows. 


^ol=Vci 


h2=^C\ 


^2  ■*"  ^LD 


Rl+Rl 


(®a»g  ~ ^ pen^~  cS^2  ■*"  ^C2(“ 


(4-23) 


(4-24) 


(4-25) 


(4-26) 


where  and  P  are  defined  in  the  aforementioned  Appendix  subsections. 

Considering  still  converter  1,  Equations  (4-20),  (4-23),  and  (4-25)  are  combined 
into  a  single  expression  as  follows. 


^  =  Vci  (^n  )+  («12  )+ Vc2  («13  )+  (^11 ) 


(4-27) 


where 


2C,a2 


C^j 


(4-28) 


(4-29) 


=  +2R 

2C,a2  C,a2 


(4-30) 
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(4-31) 


K  =  — • 

"  c, 

Equations  (4-19)  and  (4-25)  for  converter  1  are  combined  into  the  single  equation 


dx^ 


=  V, 


Cl 


^/l^/r.  .,r.  \V 


C2 


JllL 

\  2^2 


{R,+2R^)\  +  V„.,.  (4-32) 


This  equation  it  rewritten  for  clarity  as 


ref\ 


(4-33) 


where 


«21  =-l  + 


M 

2a^ 


(R,*2Ru,) 


(4-34) 


and 


(4-35) 


Equations  (4-27)  and  (4-33)  constitute  the  state-space  representation  for  converter 
1.  A  similar  state-space  representation  is  derived  for  converter  2  and  is  given  by 
Equations  (4-36)  and  (4-41).  The  expression  for  the  converter  2  output  voltage  state 
variable  is 

dVr 


where 


dt 


*33 


■  =  Vc,  fc,  )+  Vc2  (^33  )+  ^2  {a,,  )+  (^32  ) 

(4-36) 

‘h,= 

(4-37) 

2C2^2  ^2  ^2^2 

(4-38) 

II 

(4-39) 

<n|  rv 

<1o 

II 

rs 

(4-40) 
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The  expression  for  the  converter  2  controller  integral  state  variable  is 

^  =  (4-41) 

where 

(4-42) 

and 

la^ 

The  entire  system  of  two  buck  converters  with  current-mode  switch  control  and 
frequency-based  load  sharing  is  written  as 

^C1  ^11  ^12  ^13  ^  ^C1  ^11  ^ 

d  X,  <3,1  0  ^23  0  x,  10  \V„f^ 

_  1  =  21  23  1  «/l 

dt  V(22  ^31  ^  ^33  ^34  ^C2  ^  ^32  _^/2_ 

_  Xj  J  [^4,  0  ^43  0  JL  2^2  J  L  ^  ^  . 

where  and  are  defined  in  Equations  (4-28)  to  (4-31),  (4-34)  to  (4-35),  (4-37)  to  (4- 
40),  and  (4-42)  to  (4-43)  above.  This  state-space  model  was  coded  in  a  Matlab  file, 
which  is  shown  in  Appendix  B,  Part  C. 

E.  DERIVATION  SIMPLIFICATION 

At  this  point,  it  is  constructive  to  consider  the  remainder  of  the  derivation.  A 
state-space  model  is  now  available,  as  shown  in  Equation  (4-44).  Recall  from  Part  A  of 
this  chapter  that  the  next  step  in  the  derivation  is  to  e3q)ress  the  system  matrix 
characteristic  polynomial  in  terms  of  the  unknown  gains.  Several  dilSficulties  are 
encountered  in  taking  this  next  step. 

The  first  difficulty  lies  m  the  fact  that  more  unknown  gains  exist  than  polynomial 
degrees.  With  three  unknown  gains  h^,hy,  and  from  each  converter,  there  are  a  total 
of  six  gains  in  the  two-converter  system.  The  gains  caimot  be  foimd  explicitly.  The 


45 


simplifying  assumption  which  makes  the  most  sense  is  that  the  integral  gains  for  each 
controller  are  equal  =  h„2 ),  as  well  as  proportional  gains  With  this 

assumption,  the  number  of  unknown  gains  is  four,  and  may  be  found  by  solving  the 
fourth-order  polynomial. 

A  more  worrisome  observation  is  that  finding  a  closed-form  expression  for  gains, 
given  Equation  (4-44)  as  a  starting  point,  is  very  difficult.  Obtaining  a  polynomial  from 
the  state-space  model,  as  shovm  in  the  step  between  Equations  (4-6)  and  (4-7),  requires 
finding  an  expression  for  eigenvalues  A  of  the  system  matrix  by  calculating  \XI-A\. 
The  4x4  system  shown  in  Equation  (4-44)  is  rather  complex  and  yields  an  unwieldy 
result. 

To  overcome  this  difficulty,  another  simplifying  assumption  is  made.  Since  the 
connection  resistances  are  small  relative  to  the  load  resistance,  the  effect  of  paralleling 
modules  may  be  approximated  simply  by  paralleling  the  output  capacitors.  Thus, 
multiple  buck  modules  may  be  replaced  by  a  single  buck  with  appropriately  increased 
output  capacitance.  Controller  gains  are  therefore  approximated  by  using  the  single¬ 
converter  model  with  no  load  sharing  and  changing  the  value  of  C  according  to  the 
number  of  parallel  modules. 

The  single-converter  characteristic  polynomial  in  Equation  (4-7)  is  altered  by 
replacing  C  with  (2  x  C),  thus  representing  the  additional  capacitance  added  by  a  second 
converter  in  parallel.  Load  resistance  R  in  Equation  (4-7)  must  be  changed  as  well 
because  the  rated  power  for  two  converters  in  parallel  is  twice  that  of  a  single  converter. 
Minimum  load  resistance  for  the  two-converter  case  is  half  that  of  the  single-converter 
case.  The  table  below  shows  load  resistance  and  filter  capacitance  appropriate  for 
estimating  one-,  two-  or  three-converter  systems  at  full  load  or  10%  rated  load. 
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Load  (%) 

R(n) 

C(nF) 

hn  hv  1 

One  Converter: 

100 

||||| 

One  Converter: 

10 

Two  Converters: 

100 

5 

800 

'  ;  '-J'  '  ‘  'T'V' '  ^  i  e 

fe"  ’■'>  <'T'  ‘ • : 

Two  Converters: 

10 

50 

800 

Three  Converters: 

100 

[H  sSiH 

'  ll  "  - 

Three  Converters: 

10 

- 

Table  IV-1  Simplified  Gain  Derivations 


Thus  gains  are  approximated.  Recall  that  the  single-converter  system  used  for 
calculating  this  approximation  used  no  load  sharing  mechanism.  No  values  for  load 
>haring  gain  are  calculated  in  this  approximation.  Load  sharing  gains  will  be  found  by 
rial  and  error  once  the  simulation  is  run. 

It  is  desired  to  see  how  well  this  approximation  for  the  two-converter  system  gain 
calculation  works.  To  evaluate,  appropriate  gains  are  placed  into  the  detailed  Matlab 
epresentation  for  the  two-converter  system.  Those  gains  used  are  =1 .24  and  = 

540.  Load  sharing  gains  hf  are  set  to  zero  for  comparison  purposes.  Recall  from  Part  B 
)f  this  chapter  that  the  desired  system  poles  are  -800  and  -1000.  The  expected  poles  for 
he  two-converter  system  if  this  approximation  were  perfectly  accurate,  are  two  at  -800 
md  two  at  -1000.  The  Matlab  m-file  in  Appendix  B,  Part  C  is  set  up  to  calculate  system 
3oles  when  the  above  values  of  gains  \  and  are  used  for  both  converter  module 
controllers.  Connection  resistances  R,  and  R2  are  1  mD.  The  resulting  poles  from  this 
est  are;  -2.5031e+6,  -2612.6,  -612.42,  and  -0.63921. 

The  poles  for  the  system  with  approximated  gains  are  all  real,  just  as  the  desired 
joles  for  the  single-converter  system  are.  Notice  however  that  the  lowest  pole  is  -0.6 
compared  with  -800,  and  the  largest  pole  is  -2e-i-6  as  opposed  to  -le-3.  Therefore  the 
emulation  for  the  two-converter  system  using  these  approximated  gains  will  not  have  the 
same  transient  response  as  a  single  converter.  It  is  hoped  that  these  gains  are  close 
mough  to  provide  a  stable  simulation  with  which  load  sharing  properties  among  two 
converters  can  be  tested. 
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F. 


POLE  SELECTION 


It  was  asserted  in  Part  B  of  this  chapter  that  the  desired  system  poles  are  real  poles 
of -800  and  -1000  and  no  explanation  was  given.  These  poles  were  found  to  give  good 
system  response  when  used  in  the  single-converter  current-mode  system  with  no  load 
sharing  mechanism.  Gains  and  were  adjusted  to  minimize  voltage  overshoot  and 
settling  time  for  a  load  step  change  transient.  The  gains  which  were  found  by  trial  and 
error  provided  voltage  spikes  of  less  than  5  V  when  the  step  load  change  was  1 00%  to 
20%.  The  poles  associated  with  these  gains  are  different  from  those  first  attempted. 

First,  a  slightly  underdamped  two-pole  system  was  used.  It  was  found  that  simulation 
with  those  system  poles  showed  too  oscillatory  a  response.  Future  work  should  include  a 
method  of  finding  desired  system  poles. 
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V.  SIMULATION 


A.  ADVANCED  CONTINUOUS  SIMULATION  LANGUAGE  MODEL 


The  previous  chapter  presented  derivations  that  were  the  basis  for  the 
determination  of  gains.  The  end  goal  of  that  exercise  is  to  obtain  gains  for  use  in  the 
digital  simulation  such  that  the  system  will  have  a  suitable  transient  performance. 
Construction  of  the  simulation  model  itself  is  relatively  straightforward.  All  that  is 
required  is  to  represent  the  system  governing  equations  in  the  syntax  of  the  simulation 
language.  The  simulation  tool  used  for  this  thesis  is  the  Advanced  Continuous 
Simulation  Language  (ACSL).  The  simulation  was  constructed  in  ACSL  for  a  system  of 
three  parallel  current-mode-switched  buck  converters  using  frequency-based  load  sharing. 

As  derived  in  Chapter  IV,  the  set  of  equations  which  fully  describe  a  buck 
converter  using  current-mode  switch  control  and  frequency-based  load  sharing  are  the 
following.  Subscripts  indicate  that  these  equations  are  for  converter  module  number  1. 


C  "/lV"est  ^  peril)  ^Cl)  ^ 


)- 


(5-2) 


(5-3) 


if^avg  ^ peril) ~  [^Cl(  -^2  ■*"  (5"4) 

Constants  and  are  defined  in  Appendix  A,  Parts  B  and  C. 

An  ACSL  representation  for  a  system  of  three  converters  was  constructed  and  is 
shown  in  Appendix  C.  Both  the  .csl  file  and  the  .cmd  file  are  listed.  The  body  of  the  .csl 
file  was  obtained  from  previous  research  work.  That  original  .csl  file  was  a  detailed 
simulation  for  a  single  PWM-switched  buck  converter,  which  allowed  for  both 
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continuous  and  discontinuous  conduction  modes.  Modifications  to  the  switching  rules 
were  made  to  this  file  in  order  to  simulate  current-mode  switching.  The  algorithm  for  the 
commanded  current,  as  shown  by  Equations  (5-1)  to  (5-4)  above,  replaced  that  for 
commanded  duty  ratio  in  the  original  file.  Multiple  converter  modules  are  realized  in  the 
simulation  by  duplicating  the  governing  equations  for  power  section  and  controller 
section.  Numerical  subscripts  are  added  to  distinguish  between  the  three  converters 
represented.  The  dynamics  of  the  resistance  network  in  the  power  section  required  the 
use  of  the  load  voltage  Vld  and  load  current  /ld  derivations  in  terms  of  state  variables  for 
three  converters,  as  described  in  Appendix  A,  Parts  1  b)  and  2  b). 

As  stated  in  Chapter  IV,  the  gains  for  a  multi-converter  system  are  approximated 
by  assuming  a  large  aggregate  converter  and  are  not  calculated  explicitly.  The 
approximated  gains  for  one-,  two-,  and  three-converter  configurations  at  100%  and  10% 
load  are  summarized  in  Table  IV-1 .  Referencing  this  table,  =  960  and  h^  =  \  .96  are 
appropriate  for  three  parallel  converters  operating  over  a  range  of  loading  conditions. 

Load  sharing  gains  hf^,  /z^,  are  chosen  experimentally.  These  gains  are  chosen 
at  0.01  because  the  load  sharing  performance  has  been  proven  with  these  values,  and  the 
system  performance  for  which  PI  gains  are  chosen  to  optimize  was  not  terribly 
compromised. 

B.  LOAD  SHARING  PERFORMANCE 


1.  Connection  Resistance  Effects 

A  robust  load-sharing  mechanism  will  allow  approximately  equal  current  firom  all 
parallel  converters  when  connection  resistances  are  imequal.  One  ACSL  simulation  was 
run  with  connection  resistances  R^,  R2,  and  R^  equal  to  0.02,  0.04,  and  0.05  Q 
respectively.  All  frequency-based  load  sharing  gains  ha,  /z^,  were  set  at  0.01.  Figure 
V-1  shows  the  output  from  that  simulation. 
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8. 


>■ 


Figure  V-l  ACSL  Simulation:  Different  Connection  Resistances,  Load  Sharing 

Employed 

As  is  evident  in  Figure  V-l,  inductor  current  stabilizes  quickly  to  a  value  very 
close  to  that  of  the  other  modules. 

Figure  V-2  shows  the  same  simulation  as  in  Figure  V-l  except  with  load  sharing 
gains  /Zfl,  h^,  set  to  zero.  This  simulated  system  fails  to  adequately  share  current  and 
illustrates  the  need  for  a  load  sharing  mechanism.  * 


51 


Figure  V-2  ACSL  Simulation:  Different  Connection  Resistances,  No  Load  Sharing 


2.  Reference  Voltages  Effects 

A  rigorous  test  of  the  frequency-based  load  sharing  scheme  was  considered  as  the 
case  where  reference  voltages  were  unequal.  Figure  V-3  shows  simulation  ouqjut  for  the 
unequal  reference  voltages  where  =  280  V,  =  300  V,  and  =  320  V.  In  Figure 
V-3  also,  load  sharing  was  used  and  are  set  to  0.01. 
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Figure  V-3  ACSL  Simulation:  Three  Converters,  Unequal  Reference  Voltages, 

Load  Sharing  Employed 


That  same  simulation  was  run  without  load  sharing,  with  hf^,  h^,  set  to  0.0. 
Results  of  that  simulation  are  shown  in  Figure  V-4.  The  other  parameters  are  unchanged 
from  the  simulation  of  Figure  V-3.  It  is  apparent  that  unequal  reference  voltages  cause 
load  sharing  to  fail.  Figure  V-3  shows  that  with  load  sharing,  inductor  currents  are  still 
not  equal.  The  system  may  be  designed  for  better  performance  by  increasing  if  it  is 
suspected  that  unequal  reference  voltages  of  this  magnitude  are  possible.  In  general, 
however,  such  large  discrepancies  between  reference  voltages  is  not  expected. 


Figure  V-4  ACSL  Simulation:  Three  Converters,  Unequal  Reference  Voltages,  No 

Load  Sharing 


C.  TRANSIENT  PERFORMANCE 

The  preceding  discussion  showed  that  the  load  sharing  characteristics  of  the  group 
of  parallel  converters  works  well  when  frequency-based  load  sharing  is  employed. 
Transient  stability  must  also  be  considered.  Recall  that  the  controller  gains  were  not 
selected  to  provide  precise  system  poles  but  were  instead  approximated.  The  system  is 
expected  to  perform  marginally  when  gains  are  selected  in  this  maimer.  The  two 
simulation  results  show  that  this  is  indeed  the  case. 
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Figure  V-5  shows  simulation  output  for  a  step  load  change  from  100%  to  20%. 
Both  the  voltage  spike  of  20  V  and  the  tendency  of  current  to  increase  before  settling  at  a 
lower  steady-state  value  are  undesirable. 


Figure  V-5  ACSL  Simulation:  Three  Converters,  Step  Load  Change  From  100%  to 

20% 


Figure  V-6  shows  simulation  results  for  the  case  of  three  converters  online  with 
one  abruptly  shut  down.  A  converter  would  be  brought  on  or  off  line  by  slowly  ramping 
reference  voltage  up  or  down.  The  simulation  of  Figure  V-6  is  intended  to  prove 
performance  in  worst-case  conditions,  where  one  redundant  power  supply  is  perhaps  lost 
due  to  battle  damage.  As  with  the  step  load  change  simulation,  transient  performance  is 
marginal.  This  situation  will  hopefully  be  remedied  by  more  careful  gain  selection. 
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T  •i(r2  *1'  4iir? 


Figure  V-6  ASCL  Simulation:  Three  Converters,  One  Powered  Down  Abruptly 
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VI.  CONCLUSIONS 


A.  SUMMARY  OF  FINDINGS 

Current-mode  switch  control  is  better  suited  than  PWM  for  converters  with  load 
sharing  because  of  its  direct  control  of  output  current.  Current-mode  control  is  more 
robust  than  PWM  in  that  respect. 

The  rms  frequency  estimation  algorithm  and  hardware  proposed  by  [24]  performs 
well.  The  analog  model  built  during  research  generates  an  ou^ut  signal  which  varies  as 
the  actual  rms  of  the  input  frequencies.  One  simplifying  assumption  was  that  filtering 
would  remove  all  frequency  content  except  that  related  to  load  sharing. 

Simulations  showed  excellent  load  sharing  performance  with  current-mode 
frequency-based  control,  even  when  controller  gains  were  roughly  approximated. 

B.  FUTURE  WORK 

Several  areas  of  research  related  to  frequency-based  load  sharing  in  the  context  of 
PEBB  design  within  DC  ZEDS  were  not  fully  explored.  The  following  paragraphs 
outline  some  of  the  areas  where  this  research  may  be  continued. 

One  aspect  of  frequency-based  load  sharing  not  examined  was  the  correlation 
between  perturbation  input  signal  amplitude  and  perturbation  amplitude  at  the  converter 
output.  In  order  to  specify  perturbation  generator  output  signal  amplitude,  filtering  of 
output  voltage  should  be  simulated. 

The  next  step  in  verifying  the  utility  of  frequency-based  load  sharing  for  DC 
ZEDS  usage  should  be  the  construction  of  a  hardware-in-the-loop  model.  Use  of  a 
dSPACE  card  on  a  workstation  with  Simulink  allows  a  controller  model  to  accept  inputs 
from  a  hardware  circuit  while  the  simulation  is  in  progress.  Variables  from  that 
simulation  may  also  drive  outputs  back  to  the  hardware  circuit.  Since  all  components  of 
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a  system  of  converters  employing  frequency-based  load  sharing,  except  the  rms 
frequency  estimator  circuit  itself,  are  easily  simulated,  a  hardware-in-the-loop  test  using  a 
frequency  estimator  circuit  in  hardware  should  be  much  more  accurate  than  a  purely 
digital  model. 

Controller  gains  were  not  precisely  calculated  for  the  simulations  in  this  thesis, 
but  were  estimated  because  of  the  complexity  of  calculation.  Numerical  methods  such  as 
Newton-Raphson  should  be  considered  for  precise  gain  calculation. 

One  point  of  difficulty  with  the  two-pole  approximation  of  the  multi-pole 
converter  system  is  that  placement  of  the  two  poles  for  slight  damping  yielded  oscillatory 
response  in  simulation.  The  desired  response  was  achieved  when  the  two  poles  were 
placed  on  the  real  axis.  This  behavior  is  most  likely  caused  by  the  fact  that  the  two-pole 
system  poorly  approximates  the  actual  system. 

Transient  performance  simulations  in  Chapter  V  Part  C  showed  that  the  inductor 
current  exhibits  a  nonminimum  phase  response — current  increases  initially  before  it 
settles  at  a  lower  value.  If  this  behavior  remains  even  in  simulations  for  which  precise 
gains  are  calculated,  a  possible  solution  is  the  inclusion  of  a  current  error  term  into  the 
expression  for  (Equation  (2-5)),  similar  to  the  term  -  zj  in  Equation  (2-4),.  This 
current  error  control  would  effectively  provide  PID  control  on  converter  output  voltage 
and  possibly  further  stabilize  current  excursions. 
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APPENDIX  A:  DERIVATIONS 


A.  CURRENT-MODE  STATE-SPACE  DERIVATION 


Chapter  IV  shows  a  current-mode  converter  derivation  in  which  the  simplifying 
assumption  i*  =  Zl  is  made  to  justify  neglecting  the  inductor  current  state  variable.  A 
more  detailed  analysis  may  require  the  z’l  state  variable  to  be  used,  especially  when  slope 
compensation  is  employed,  since  compensation  widens  the  gap  between  i*  and  The 
following  state-space  model  development  includes  z'l  in  the  analysis. 

The  first  task  in  the  derivation  is  to  find  a  single  expression  for  the  duty  ratio  d  in 
terms  of  the  commanded  current  i*  and  state  variables  z'l  and  Vc-  As  [17]  illustrates, 
inductor  current  at  the  start  of  each  switching  period,  ZL„i„,  is  expressed  by 

hm.=i*-mdT,  (A-1) 

where  m  is  the  slope  of  the  rising  inductor  current  plus  slope  compensation,  d  is  the  duty 
ratio  for  the  switching  period  in  question,  and  is  the  switching  period.  The  quantity  dT^ 
represents  the  time  the  switch  is  on.  Knowing  that  ZL^vg  is  equal  to  4  at  time  (O-Sz/Tj), 
may  be  expressed  as 


^Lavg  ^imin 


(A-2) 


when  Equations  (A-1)  and  (A-2)  are  combined. 

Slope  m  is  the  rising  inductor  current  slope  plus  slope  compensation  and  may  be 
expressed  as 


(A-4) 


Thus  the  expression  for  Zi^^g  may  be  rewritten  as 


j  _.•*  VJTs  VcdT^ 

‘Lavg  -  ‘ 


2L  2L 

Equation  (A-5)  is  the  desired  expression  relating  /*,  d,  and  the  state  variables  4 
and  Vc-  However,  Equation  (A-5)  is  nonlinear.  The  expression  is  easily  linearized  as 


(A-5) 


A/,_  =  A/  *  -{ ^  W  -  {  ^^Iac?  -  {  ^1aF„ 


Lavg 


2L 


2L 


2L 


(A-6) 


where  is  the  steady-state  capacitor  voltage,  assumed  to  be  equal  to  and  d^  is  the 
steady-state  duty  ratio,  assumed  to  be  equal  to  /  Vi„.  Of  course,  since  this  expression 
is  linearized,  the  final  state-space  representation  will  be  linearized  as  well. 

The  next  task  in  the  derivation  is  to  convert  from  input  A^/to  input  Az*  by 
substituting  the  expression  for  Ad  into  the  linearized  state-space  model.  Equation  (A-6) 
is  therefore  rearranged  to  solve  for  Ad. 


Ad  = 


2L 


The  linearized  state-space  averaged  model  for  a  buck  converter  power  section  is 


2L 


■Az, 


re/ 


-AV^ 


d^ 

dt 


■-1  r 

RC  C 

_ 1 

^  0 

L  J 

LtJ 

(A-7) 


(A-8) 


Equation  (A-7)  is  substituted  into  Equation  (A-8)  to  replace  Ad  by  Az*  as  the  system 
input.  The  result  is  as  follows. 


-1 

1 

RC 

-1 

C 

-2F^ 

(n,+^W)r,_ 

+ 


0 


Az*(A-9) 


The  final  task  in  the  complete  current-mode  state-space  model  derivation  is  to 
place  a  control  algorithm  into  the  model  and  thus  convert  the  model  input  firom  Az*  to 
AF„f.  The  control  algorithm  from  Equation  (2-5)  is  used,  which  is  expressed  by 
Equations  (A- 10)  and  (A-1 1). 


60 


(A-10) 
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B.  OUTPUT  CURRENT  CONVERSION 


The  derivation  in  this  section  outlines  how  the  converter  output  current  4  is 
expressed  in  terms  of  state  variables,  both  for  the  two-  and  three-converter  cases.  The 
two-converter  expression  is  coded  into  the  Matlab  state-space  representation  for  two 
converters,  and  the  three-converter  expression  is  used  in  the  ASCL  model. 

Recognize  from  Figure  II- 1  that  converter  module  output  current  4i,  according  to 
Ohm’s  Law,  may  be  expressed  as 


;  _^C1-V£Z) 
‘ol  “ 


Rr 


(A-2I) 


It  is  useful  to  derive  an  expression  for  load  voltage  Vn,  in  terms  of  state  variables 
as  an  intermediate  step  in  deriving  an  expression  for  4,.  Since  state-space  representations 
for  both  two-  and  three-converter  systems  are  presented  in  this  thesis,  the  derivations  to 
follow  are  performed  for  both  cases.  The  following  derivation  holds  for  the  power 
section  of  any  buck  converter,  regardless  of  the  control  method. 


1.  Load  Voltage 


a)  Two  Converters 


KirchhofF s  Current  Law  (KCL)  at  the  node  joining  two  converters  to  the  load 
gives  the  following  expression. 


Simple  Ohm’s  Law  expressions  for  each  resistor  yield  Equations  (A-23)  to  (A-25). 

,•  _  ^C1  “  ^iD 

'•'-—rT 

■  _  '^C2  ~^ID 


(A-22) 


(A-23) 

(A-24) 
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(A-25) 


^LD 


The  following  expression  is  obtained  by  substituting  these  three  expressions  into 
Equation  (A-22)  and  solving  for  load  voltage. 


~  ^C1 


^2^LD 


R,R,  +  R,R,^  +  R,R,^  )  ^\R^R,  +  R^R^  +  R^R^ 


(A-26) 


For  simplicity,  02  is  defined  as 


CX2  —  R1R2  R]Rid  RiRw  •  (•^■27) 

Notice  that  the  subscript  “2”  indicates  that  this  is  the  a  for  a  two-converter  system  and 
not  for  module  number  2. 

Using  this  definition  of  the  expression  for  load  voltage  may  be  reduced  to 


'LD  —  •'Cl 


^2^LD 


(A-28) 


b)  Three  Converters 

Similar  to  the  two-converter  case,  KVL  at  the  node  joining  three 


converters  is 


^U>  -^o\  +^o2  +U35 


and  may  be  expanded  to 


^LD  _  ^C1  ^LD  I  ^C2  ^LD  |  ^C3  ~  ^ LD 


(A-29) 


(A-30) 


By  solving  for  load  voltage  and  isolating  capacitor  voltage  state  variables, 
die  following  e3q)ression  is  derived 


^LD-^Cl  _  +Vc2  -  +Vc3  - 


(A-31) 


where 


®3  ^l^2^3  •^1-^2-^iD  ■*"  ^2^3^LD  ^l^3^LD  * 


(A-32) 
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2.  Output  Current 


a)  Two  Converters 

KCL  at  the  node  joining  two  converters  gives  the  equation 


^ol  ~^LD  hi’ 


which  may  be  expanded  to 


(A-33) 


hi  = 


^LD  ^C2 


Rr 


R-, 


(A-34) 


'■LD  ^'■2 

When  voltage  terms  are  collected,  Equation  (A-35)  is  derived. 


hi  ~  ^LD 


1  1 

■  +  ■ 


V  ^LD  ^2  J 


+v 


^-0 


C2 


(A-35) 


This  equation  may  be  rearranged  to  yield 


hi  =  ^LD 


■X. 

r-n 

^iRld  j 

J 

(A-36) 


By  substituting  Equation  (A-28)  for  load  voltage  into  Equation  (A-36),  the 
current  becomes 


hi  =Vci 


f  R->Rrn  V Ro  +  Rrn  ^ 


'^2^'-LD 
\  ^2  J 


LD 

\  Ri^ld  J 


+  V, 


C2 


RiR 


LD 


\  «2  y 


^2  +  ^LD 

\  Ri^LD  j 


+  v, 


C2 


\^iJ 


(A-37) 


After  collecting  state  variables.  Equation  (A-37)  reduces  to 

i?ji?2  RiRlD  ~®2 


fR,+R  ^  /DD.nn 


hi  =Vci 


*■10 


a. 


+  v 


C2 


which  may  be  further  simplified  to 


hi  =Vci 


Rl  "^^LD 
V  «2  y 


+  v, 


C2 


i?2«2 


t^LD 

\  J 


(A-38) 


(A-39) 


Equation  (A-39)  is  the  final  expression  for  4,  in  terms  of  state  variables. 
The  expression  for  42?  derived  in  a  similar  manner,  is 
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h2=^a 


^LD  I  I  [  -^I  ^LD 
''C2 


(A-40) 


b)  Three  Converters 

The  expanded  KCL  expression  at  the  node  joining  three  converters  is 


^LD  ^C2  ^LD  ^C3  ^LD 


(A-41) 


which  may  be  rearranged  as  the  following  when  state  variables  are  collected. 


*ol  ~  ^LD 


1  1  1  1 

- + - 1 - +v, 

^ID  ^2  -^3  J 


1  -1 
-  H-v^J  — 


(A42) 


Equation  (A-42)  is  converted  to  the  following  expression  to  establish  a  common 
denominator. 


■^2^3  •^iD-^3  ■^10-^2  I  .  |~M 

^LD^2^3  J  1-^2  J  1-^3 


(A-43) 


Just  as  in  the  two-converter  case,  the  expression  for  the  load  voltage,  v^d, 
from  Equation  (A-31)  is  substituted  into  Equation  (A-43).  The  final  expression  is 
simplified  when  the  state  variable  coeflBcients  are  rearranged  such  that  is  in  the 

denominator.  The  intermediate  expressions  are  quite  lengthy  but  the  final  result  is 


(A-44) 


Expressions  for  1^2  and  1^3  are  derived  in  a  sunilar  manner  and  are  shown  in  Equations  (A- 
45)  and  (A-46). 


^o2=Va 


^LD^3 


■^1-^3  '^■^ID'^1  ^LD^3 


(A-45) 


'.J=’’c[ 


^LD^2 


^LD^l 


^LD^2 


(A-4‘6) 
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C.  FREQUENCY  ERROR  CONVERSION 


The  derivation  in  this  section  outlines  how  estimated  frequency  is  expressed 
in  terms  of  state  variables,  both  for  the  two-  and  three-converter  cases.  The  two- 
converter  expression  is  used  in  the  Matlab  state-space  representation,  and  the  three- 
converter  expression  is  used  in  the  ASCL  model. 

1.  Two  Converters 


The  term  -  6)^^^)  is  frequency  error,  where  6)^5,  is  the  estimated  frequency 
content  of  the  combined  output  voltage  in  a  multi-converter  system,  and  cOp^^  is  the 
perturbation  frequency  of  the  individual  converter  corresponding  to  its  own  output 
current  i^.  Recall  that  [24]  recommends  an  rms  frequency  estimation  method,  which  is 
also  evaluated  in  this  thesis.  Recall  also  that  the  expression  for  estimated  frequency  using 
the  rms  method,  as  given  in  Equation  (3-1),  is  as  follows. 


Cl)  ,  = 


^pert\  ■*'^2®pert2 


2  2  2 
+  C2  +C3 


(A-47) 


For  the  case  of  two  converters,  both  weighted  equally,  that  expression  reduces  to 


^«/=- 


V2 


(A-48) 


Placing  this  expression  into  the  state-space  representation  will  introduce 
nonlinearities.  It  was  realized  that  when  all  perturbation  frequencies  are  close,  the 
average  is  a  very  good  estimate  of  the  rms  value.  Even  though  rms  frequency  estimation 
was  simpler  to  implement  in  hardware,  estimation  by  averaging  is  simpler  in  state-space 
modeling  and  in  digital  simulation.  For  that  reason,  the  following  expression  is 
considered. 


^rms  —  avg  ^ 


(A-49) 
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Therefore,  with  -  ®peit)  reduced  to  the  frequency  error  term  may 

be  expressed  as  a  linear  function  of  state  variables. 

The  perturbation  frequency  may  be  expressed  as 


^  pert  ®min 


^max  ^min 


(A-50) 


where  co^  and  are  the  perturbation  frequency  range  limits,  and  is  converter 

ou^ut  current  associated  with  its  rated  power.  For  simplicity  of  expression,  a  constant  P 
is  defined  and  expressed  as  follows. 


P  _  ^max  ^min 

^  Mr  feta  A 


(A-51) 


Thus,  Equation  (A-50)  may  be  written  as 


(A-52) 

Combining  Equations  (A-49)  and  (A-52),  frequency  error  for  converter  one  of  the  two- 
converter  system  may  be  expressed  as 

{o>a^  -0>per,x)^  “^l)’  (A-53) 

Finally,  by  substituting  the  expressions  for  4i  and  from  Equations  (A-39)  and 
(A-40)  into  Equation  (A-53),  an  expression  for  frequency  error  in  terms  of  state  variables 
is  derived  as 


(f^avg  2^  [^ci(  -^2  (A-54) 

Sumlarly,  the  frequency  error  expression  for  converter  two  of  the  two-converter  system  is 

^C2 (~ (A-55) 
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2. 


Three  Converters 


The  three-converter  derivation  for  frequency  error  in  terms  of  state  variables  is 
quite  lengthy  but  follows  the  same  approach  as  the  two-converter  derivation.  The  starting 
point  is  the  following  expression  for  average  perturbation  frequency,  similar  to  Equation 
(A-49). 


^pen\ 


(A-56) 


From  Equation  (A-56)  and  the  (o^  expression  in  Equations  (A-52),  the  following 
expression  for  frequency  error  is  obtained. 

[(^ayg  -  )  =  f  I"  +  hi  +  hi  ]  (A-57) 

Substituting  the  three  4  expressions  of  Equations  (A-44)  to  (A-46)  into  Equation 
(A-57),  the  final  frequency  error  is  derived. 

if^avg  ”  ^pert\  )~  ^C1  ^^2^3  “  ^LD^2  ”  ) 

^C2  3^  (^1^3  +  )  (A-58) 

“*■^03  3^  (*^1^2  ^  ^LD^2^ 

Similar  frequency  error  expressions  may  be  derived  for  converters  2  and  3.  Those 
final  expressions  are  given  in  Equations  (A-59)  and  (A-60). 

ip^avg  “  ^perr2  )“  ^C1  ^^(^2-^3  ^^LD^2  ~  ^LD^3  ) 

^C2  2^  ”  ^LD^l  ”  ^LD^3  ) 

^C3  3^  ('^l‘^2  ^ID^2  ) 
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(A-60) 
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APPENDIX  B:  MATLABCODE 


A,  CODE  WHICH  GENERATED  PLOT  III-3 


%  Jonathan  Moore 
%  Filename:  est.m 

%  This  routine  caluculates  the  actual  rms  value  of  two  input 
frequencies 

%  and  generates  plots  to  compare  those  values  with  experimentally- 
determined 
%  values 

clear  all 
format  long  g 

fl  =  2000:  50:  5000; 
f2  =.2000:  50:  5000; 
wl  =  2*pi*fl; 
w2  =  2*pi*f2; 
cl  =  1; 
c2  =  1; 

%  Experimental  Data 
%  fl  =  2KHz,  f2  vs.  Vout 
f2  =  [2000  2500  3000  3500  4000  4500  5000]; 
w2  =  2*pi*f2; 

VI  =[  3  24  46  70  95  119  143] /225; 

V2  =  [  43  60  76  97  120  141  165] /225; 

V3  =  [  88  102  119  134  153  170  191] /225; 

V4  =  [135  146  159  172  189  205  225] /225; 

el  =  (sqrt{(cl"^2  *  (2*pi*2000)  .  ^2)  +  {c2'^2  *  w2.^2))  /  sqrt(cl^2  + 
c2-2) ); 

e2  =  (sqrt{(cl"^2  *  (2*pi*3000)  .  ^2)  +  (c2'"2  *  w2.^2))  /  sqrt{cl^2  + 

c2^2 )  ) ; 

e3  =  (sqrt((cl^2  *  (2*pi*4000)  .  ""2)  +  {c2^2  *  w2.^2))  /  sqrt{cl'"2  + 
c2^2)  )  ; 

e4  =  (sqrt((cl^2  *  (2*pi*5000)  . '"2)  +  {c2"^2  *  w2.'^2))  /  sgrt{cl^2  + 
c2-2)); 

esl  =  (el  “  min{el) ) / { . 6*max{e4) ) ; 
es2  =  {e2  -  min{el) ) / { . 6*max{e4) ) ; 
es3  =  {e3  -  min{el) ) / { . 6*max(e4) )  ; 
es4  =  (e4  -  min(el) ) / ( . 6*max(e4) ) ; 

eal  =  {2*pi*2000  +  w2)  /  2; 

ea2  =  {2*pi*3000  +  w2)  /  2; 

ea3  =  (2*pi*4000  +  w2)  /  2; 

ea4  =  (2*pi*5000  +  w2)  /  2; 

easl  =  (eal  -  min (eal) ) / ( . 6*max (ea4 ) ) ; 

eas2  =  {ea2  -  min (eal) ) / ( . 6*max (ea4 ) ) ; 

eas3  =  {ea3  -  min (eal) ) / ( • 6*max (ea4 ) ) ; 
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eas4  =  (ea4  -  min  (eal )  )  /  ( .  6*inax  {ea4 )  )  ; 
figure  (1) ; 

plot (w2resl,w2,es2,w2,es3,w2,es4,w2,easl, * ,w2,eas2, * ,w2,eas3, 
*,w2,eas4,*“  ’ ,w2, VI, »o’ , w2, V2, ,w2,V3,  *o* ,w2,V4, ’o’ ) ,  grid 
LEGEND ( ’Theoretical  Data,  f  =  2000 Theoretical  Data,  f  = 

3000 Theoretical  Data,  f  =  4000 ’,’ Theoretical  Data,  f  = 

5000 ’,’ Experimental  Data,  f  =  2000 Experimental  Data,  f  = 

3000 *, ’Experimental  Data,  f  =  4000 Experimental  Data,  f  =  5000’, 0) 
xlabel { ’Angular  Frequency  (rad/sec)  Corresponding  to  f  =  2KH2  to  5KH2’) 
ylabel (’ Frequency  Estimator  Output,  Normalized’) 


B.  SINGLE-CONVERTER  SYSTEM 


%  Jonathan  Moore 
%  Filename:  cml.m 

%  See  section  on  Single-Converter  Gain  Derivation  in  Ch  IV,  Part  B 

%  This  MATLAB  code  calculates  either  of  the  following  for  a  single  buck 
%  converter  using  current  mode  control  and  no  load  sharing  mechanism. 

%  1.  Characteristic  polynomial  given  gains 

%  2.  Gains  given  characteristic  polynomial 

%  Range  of  possible  load  resistance: 

%  MIN  =  3.33  ohms  (three  converters,  100%  load) 

%  MAX  =  100.0  ohms  (one  converter,  10%  load) 

%  Range  of  possible  capacitance: 

%  MIN  =  400  uF  (one  converter) 

%  MAX  =  1200  uF  (three  converters) 

clear  all 
format  long  g 

%  Power  section: 

R  =  33.3; 

C  =  1200e-6; 

%  Specify  the  desired  roots 
rdes  =  [-1000  -800] 

%  Find  desired  polynomial: 
pdes  =  poly (rdes) 

b  =  pdes (2)  %8800; 
c  =  pdes (3)  %6. 4e6; 
hv  ==  C*b  -  (1/R) 
hn  =  c*C 


%  Or  specify  gains: 

%hv  =  6.95; 

%hn  =  4800; 

A=  [  -1/ (R*C)-hv/C  hn/C; 
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-1 


0  ]  ; 


B  =  [  hv/C;  1  ] ; 

pnomial  =  poly (A); 
eigs  =  eig{A); 


C.  TWO-CONVERTER  SYSTEM 


%  Jonathan  Moore 
%  Filename :  cm2 .m 

%  This  MATLAB  code  generates  a  state-space  representation  for  two 
%  current -mode  converters  using  frequency-based  load  sharing. 

%  When  gains  are  known,  this  model  may  be  used  to  find  eigenvalues 
%  (pole  locations)  and  the  steady-state  values  of  the  state 
%  variables. 


%  Control  defined  by  the  following  equations: 

%  *  dvCl/dt  =  (irefl  -  iol)  /  Cl 

%  *  irefl  =  hvl (Vref  -  vCl  +  hf 1 (west  -  wl)) 

%  Assumptions: 

%  *  iL  =  iref 

%  *  wrms  =  wavg 


clear  all 
format  short  g 
%diary  p2cml,out 


%  Constants: 

P  =  9000; 

Vinl  =  400; 

Vin2  =  400; 

Vrefl  =  300; 

Vref 2  =  300; 
hvl  -  1.24; 
hv2  =  hvl; 
hnl  =  640; 
hn2  =  hnl; 
hfl  =  0; 
hf2  =  hfl; 

LI  =  760e-6; 

L2  =  760e-6; 

Cl  =  400e-6; 

C2  =  400e-6; 

R1  =  0.001; 

R2  =  0.001; 

RLD  =  10; 
wmax  =  2*pi*5000; 
wmin  =  2*pi*2000; 
iomax  =  P/Vrefl; 


%  rated  power 
%  input  voltage 

%  rated  voltage 

%  100.62  201.24 

%  10320  20640 


alpha  =  (R1*R2  +  R1*RLD  +  R2*RLD) 
beta  =  (wmax  -  wmin) /iomax; 


301.86 

30960 
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%  System  matrix  A  *************** 

%  row  1: 

all  =  (-hvl/Cl)  +  (-hfl*hvl*beta*(-R2-(2*RLD))/{2*Cl*alpha) )  - 
(R2+RLD)/(Cl*alpha) ; 
al2  =  hnl/Cl; 

al3  =  (-hfl*hnl*beta*(Rl+2*RLD)/(2*Cl*alpha))  +  RLD/ {Cl*alpha) ; 
al4  =  0; 

%  row  2 : 

a21  =  -1  +  (hfl*beta* (R2+ (2*RLD) ) / (2*alpha) ) ; 
a22  =  0; 

a23  =  -hfl*beta*(Rl+(2*RLD) )/(2*alpha) ; 
a24  =  0; 

%  row  3: 

a31  =  (-hf2*hnl*beta* (R2+2*RLD) / (2*C2*alpha) )  +  RLD/ (C2*alpha) ; 
a32  =  0; 

a33  =  {-hv2/C2)  +  (-hf2*hv2*beta* (-R1- (2*RLD) ) / (2*C2*alpha) )  - 
(Rl+RLD)/(C2*alpha) ; 
a34  =  hn2/C2; 

%  row  4 : 

a41  =  -hf2*beta*{R2+{2*RLD) )/(2*alpha) ; 
a42  =  0; 

a43  =  -1  +  (hf2*beta*(Rl+(2*RLD) )/(2*alpha) ) ; 
a44  =  0; 

%x  =  [  vCl  xl  vC2  x2  ]''T 
A  =  [all  al2  al3  al4; 
a21  a22  a23  a24; 
a31  a32  a33  a34; 
a41  a42  a43  a44  ] ; 

%  Input  coefficient  matrix  B  ****************** 

%  column  1 : 
bll  =  hvl/Cl; 
b21  =  1; 
b31  =  0; 
b41  =  0; 

%  column  2 : 
bl2  =  0; 
b22  =  0; 
b32  =  hv2/C2; 
b42  =  1; 

u  =  [  Vrefl;  Vref2  ]; 

B  =  [  bll  bl2; 
b21  b22; 
b31  b32; 
b41  b42  ]; 

EigsOfA  =  eig(A) 

X  =  -A\B*u; 

%diary  off 
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APPENDIX  C:  THREE-CONVERTER  ACSL  MODEL 


A.  .CSL  FILE 


Jonathan  Moore 
Filename:  cmS.csl 

Three  Parallel  Converters 

*  Current  mode  switching  control 

*  Continuous  or  discontinuous  conduction  mode 

*  Purely  resistive  load 

*  Each  converter  may  have  different  connection  resistance 

*  Each  converter  may  have  different  reference  voltage 

*  Converter  #2  may  be  powered  up  or  powered  down 
Controller  algorithm: 

*  iLavg  ~=  iref 

*  dvC/dt  =  (iref  -  io)  /  C 

*  iref  =  hn*x  +  hv(Vref  -  vC  -  hf * (wrms  -  w) )  +  ipert 

*  ipert  =  Apert  *  cos {2*pi*wmin*t  +  phase) 

*  dx/dt  =  Vref  -  vC  -  hf * (wrms  -  w) 


PROGRAM 
INITIAL 

!  Simulation  Parameters 
MAXTERVAL  maxt  =  5e~7 
algorithm 

CINTERVAL  cint  =  le-5 
ALGORITHM  ialg  =  5 
NSTEPS  nstp  =  1 

CONSTANT  tstop  =0.05 

!  Power  Section  Parameters 

CONSTANT  P  =  9000.  1  Converter  Power  9  KW 

CONSTANT  fsl  =  20000.  !  Switching  Frequency  20  KHz 

CONSTANT  fs2  =  20000. 

CONSTANT  fs3  =  20000. 

Tsl  =  1/fsl  !  Switching  Period 

Ts2  =  l/fs2 

Ts3  =  l/fs3 

CONSTANT  LI  =  ISOe-S 

CONSTANT  L2  =  760e-6 

CONSTANT  L3  =  ISOeS 

CONSTANT  Cl  =  400e-6 

CONSTANT  C2  =  400e“6 

CONSTANT  C3  =  400e-6 

CONSTANT  R1  =  0.02 

CONSTANT  R2  =  0.02 

CONSTANT  R3  =  0.02 


!  max  step  for  var  step  integration 

!  100  time  steps  per  switching  period 

!  data  communication  interval 
!  4  ->  RK  2nd,  5  ->  RK  4th 

!  stop  point  for  integration 
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CONSTANT  RLD  =  3.33 

CONSTANT  Vdi  =0.0  !  Diode  Voltage  Drop 

CONSTANT  Vsw  =0.0  !  Switch  Voltage  Drop 

LOGICAL  SWlon 

LOGICAL  SW2on 

LOGICAL  SW3on 

SWlon  =  .true. 

SW2on  =  . true . 

SW3on  =  .true. 

!  Controller  Parameters 


CONSTANT 

CONSTANT 

CONSTANT 

CONSTANT 

CONSTANT 

CONSTANT 

Vrefl  =  300. 

Vref2  =  300. 

Vref3  =  300. 

Vinl  =  400. 

Vin2  =  400. 

Vin3  =  400. 

!  Rated 

Converter 

Output  Voltage 

CONSTANT 

CONSTANT 

CONSTANT 

hvl  =1.96 
hv2  =1.96 
hv3  =1.96 

!  100.52 

201.24 

301.96 

CONSTANT 

CONSTANT 

CONSTANT 

CONSTANT 

CONSTANT 

CONSTANT 

CONSTANT 

CONSTANT 

CONSTANT 

CONSTANT 

hnl  =  960. 
hn2  =  960. 
hn3  =  960. 
hfl  =  0.01 
hf2  =  0.01 
hf3  =  0.01 
tau  =  0.0001 
wrmsic  =  31396.0 
pi  =  3.14159 

Apertl  =0,1 

!  10320 

20640 

30960 

CONSTANT  Apert2  =0.1 
CONSTANT  Aperts  =0.1 
CONSTANT  phasel  =0.0 
CONSTANT  phase2  =0.0 
CONSTANT  phases  =0.0 
wmin  =  2*pi*2000. 
wmax  =  2*pi*5000. 
iomax  =  P/Vrefl 

!  State  Variable  Initial  Conditions 
CONSTANT  iLlic  =27.5 
CONSTANT  iL2ic  =27.5 
CONSTANT  iL3ic  =27.5 
CONSTANT  vClic  =  300. 

CONSTANT  vC2ic  =  300. 

CONSTANT  vC3ic  =  300. 

CONSTANT  xlic  =  0.049 
CONSTANT  x2ic  =  0.049 
CONSTANT  x3ic  =  0.049 

!  Continuous  Conduction  Mode 
LOGICAL  ccml 
LOGICAL  ccm2 
LOGICAL  ccm3 
ccml  =  .true. 
ccm2  =  .true. 
ccm3  =  .true. 
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END  ! initial 


DYNAMIC 

TERMT  (t  .GE.  (tstop-O • 5*cint ) ) 

DERIVATIVE 

IVinl  =  Vinla  +  10 . 0*sin (5000 . 0*t ) 

!  Control  Algorithm 

pxl  =  Vrefl  -•  vCl  +  hfl*  (wrms  -  wl) 
px2  =  Vref2  -  vC2  +  hf2* (wrms  -  w2) 
px3  =  Vref3  -  vC3  +  hf 3* (wrms  -  w3) 
xl  =  INTEG(pxl,  xlic) 
x2  =  INTEG{px2,  x2ic) 
x3  =  INTEG(px3,  x3ic) 

ilpert  =  Apertl  *  cos  (2*pi*wrain*t  +  phasel) 
i2pert  =  Apert2  *  cos (2*pi*wmin^t  +  phase2) 
i3pert  =  Apert3  *  cos (2*pi*wmin*t  +  phase3) 
ilref  =  hnl*xl  +  hvl*{pxl)  +  ilpert 
i2ref  =  hn2*x2  +  hv2*{px2)  +  i2pert 
i3ref  =  hn3*x3  +  hv3*{px3)  +  i3pert 

!  Reference  Current  Ramp  with  Slope  Compensation  —  switch  drop 

ignored 

ilramp  =  (vCl/Ll) *mod (t , Tsl) 
i2ramp  =  (vC2/L2) *mod (t, Ts2) 
i3ramp  =  (vC3/L3) *mod { t, Ts3) 
ilcomp  =  iLl  +  ilramp 
i2comp  =  iL2  +  i2ramp 
i3comp  =  iL3  +  i3ramp 

1  Frequency  Injection 

beta  =  (wmax  -  wmin) /iomax 
wl  =  wmin  +  iol*beta 
w2  =  wmin  +  io2*beta 
w3  =  wmin  +  io3*beta 

wi  =  SQRT(wl**2  +  w2^*2  +  w3**2) /SQRT (3 . ) 
wrms  =  REALPL (tau, wi^ wrmsic) 

!  Determine  if  Switch  1  is  ON  or  OFF 

PROCEDURAL (SWlon, iswl  =  ilcomp, ilref , iLl) 

IF  (ilref  .GT.  ilcomp)  THEN 
SWlon  =  .true, 
iswl  =  iLl 
ELSE 

SWlon  =  .false, 
iswl  =0.0 
ENDIF 

END  ! procedural 

!  Determine  if  Switch  2  is  ON  or  OFF 

PROCEDURAL (SW2 on, is w2  =  i2comp, i2ref , iL2 ) 

IF  (i2ref  .GT.  i2comp)  THEN 
SW2on  =  .true. 
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isw2  =  iL2 
ELSE 

SW2on  =  .false. 
isw2  =  0.0 
ENDIF 

END  ! procedural 

Determine  if  Switch  3  is  ON  or  OFF 

PROCEDURAL (SW3on, isw3  =  i3comp, i3ref , iL3) 

IF  (i3ref  .GT.  i3comp)  THEN 
SW3on  =  .true. 
isw3  ==  iL3 
ELSE 

SW3on  =  .false. 
isw3  =  0.0 
ENDIF 

END  {procedural 

Derivative  of  Inductor  1  Current:  v  =  L  di/dt 

PROCEDURAL (piLl  -  SWlon, ccml , Vinl , vCl , Vdi , Vsw,  LI ) 

IF  (SWlon)  THEN 
ccml  =  .true. 
piLl  =  (Vinl-Vsw-vCl) /LI 
ELSE 

IF  (ccml)  THEN 

piLl  =  (-Vdi-vCl) /LI 
ELSE 

piLl  =  0.0  ! "discontinuous  conduction  mode" 

ENDIF 
ENDIF 

END  ! procedural 

Derivative  of  Inductor  2  Current:  v  =  L  di/dt 

PROCEDURAL (piL2  =  SW2on, ccm2, Vin2 , vC2 , Vdi , Vsw,  L2 ) 

IF  (SW2on)  THEN 
ccm2  =  .true. 
piL2  =  (Vin2-Vsw-vC2) /L2 
ELSE 

IF  (ccm2)  THEN 

piL2  =  (“Vdi-vC2) /L2 
ELSE 

piL2  =0.0  !  discontinuous  conduction  mode 

ENDIF 
ENDIF 

END  {procedural 

Derivative  of  Inductor  3  Current:  v  =  L  di/dt 

PROCEDURAL (piL3  =  SW3on, ccm3, Vin3, vC3, Vdi , Vsw, L3) 

IF  (SW3on)  THEN 
ccm3  =  .true. 
piL3  =  (Vin3-Vsw-vC3) /L3 
ELSE 

IF  (ccm3)  THEN 

piL3  =  (-Vdi-vC3)/L3 
ELSE 

piL3  =0.0  !  discontinuous  conduction  mode 

ENDIF 
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ENDIF 

END  ! procedural 

!  Derivative  of  Capacitor  Voltage:  i  =  C  dv/dt 

pvCl  =  (iLl  -  iol)/Cl 
pvC2  =  {iL2  -  io2)/C2 
pvC3  =  {iL3  -  io3)/C3 

1  State  Variables 

iLlub  =  INTEG{piLl,  iLlic) 
iL2ub  =  INTEG(piL2,  iL2ic) 
iL3ub  =  INTEG(piL3,  iL3ic) 
iLl  =  BOUND (0.0,  1.0e6,  iLlub) 
iL2  =  BOUND (0.0,  1.0e6,  iL2ub) 
iL3  =  BOUND (0.0,  1.0e6,  iL3ub) 
vCl  =  INTEG(pvCl,  vClic) 
vC2  =  INTEG(pvC2,  vC2ic) 
vC3  =  INTEG(pvC3,  vC3ic) 

!  Discontinuous  Conduction  Mode  when  iL  tries  to  go  neg 

SCHEDULE  dcml  .XN.  iLl 
SCHEDULE  dcin2  .XN.  iL2 
SCHEDULE  dcm3  .XN.  iL3 

!  Power  Section  Dynamics 

alpha  =  R1’^R2*R3  +  R1*R2*RLD  +  R2*R3*RLD  +  R1*R3*RLD 
vLD  =  vCl* (R2*R3*RLD/alpha)  +  vC2* (Rl*R3*RLD/alpha)  & 
+  vC3* (Rl*R2*RLD/alpha) 

101  =  vLD*{l./RLD  +  1 . /R2  +  1./R3)  -  vC2/R2  -  vC3/R3 

102  =  vLD^(l./RLD  +  l./Rl  +  1./R3)  -  vCl/Rl  -  vC3/R3 

103  =  vLD*(l./RLD  +  l./Rl  +  1./R2)  -  vCl/Rl  -  vC2/R2 

iLD  =  iol  +  io2  +  io3 

!  Converter  Output  Power 

51  =  vCl  *  iol 

52  =  vC2  *  io2 

53  =  vC3  *  io3 
SLD  =  vLD  *  iLD 

END  ! derivative 

DISCRETE  dcml  !  discontinuous  conduction  mode 
ccml  =  .false. 
iLubl  =  0.0 
END  ! discrete 

DISCRETE  dcm2  !  discontinuous  conduction  mode 
ccm2  =  .false. 
iLub2  =0.0 
END  ! discrete 

DISCRETE  dcm3  !  discontinuous  conduction  mode 
ccm3  =  .false. 
iLub3  =  0.0 
END  ! discrete 

END  !  dynamic 
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END  ! program 


B.  .CMD  FILE 


!  Jonathan  Moore 
!  Filename:  cm3.cmd 


!  Command  file  for  ACSL  simulation  of  three  parallel  current -mode  buck 
I  converters  using  frequency-based  load  sharing. 


s  strplt  =  .t. 
s  calplt  =  .f. 
s  pit  =  1 
s  devplt  =  1 

s  ppoplt  =  .f. 
s  xinspl  =  6 
s  weditg  =  .f. 
occurs 

s  nrwitg  =  .f. 
s  alcplt  =  .f. 


!  one  variable  per  x-axis 


!  5  ->  ps 

!  1  ->  graphic  desplay 

!  true  rotates  plot  90  deg 

!  x-axis  plot  units 

!  false  suppresses  data  write  each  time  SCHEDULE 

!  true  enables  accumulation  of  data  after  a  CONTIN 
!  false  for  b&w  plots 


prepare 

t / iLl , iL2 , iL3^  vCl , vC2 , vC3, xl, x2 , x3, iol , io2, io3, vLD,  iLD, wl , w2^  w3, wi, wrms 
prepare  Vinl, Vin2, Vin3^ iswl, isw2/ isw3, ilref,i2ref,iref3, ilcomp, i 2 comp 
prepare  SI , S2 , S3 , SLD, ilpert , i2pert , i3pert , Vref 1 , Vref 2 , Vref 3 


*****************************  *****************^^^********* 
each  of  these  procedures  performs  best  when  it  is  the  first 
after  starting  acsl 


!  First  study:  steady  state  conditions,  unequal  connection  resistances 
proced  one 

s  tstop  =  0.01 
s  R1  =  0.02 
s  R2  =  0.04 
s  R3  =  0.05 
start 
s  pit  =  1 
s  devplt  =  5 

plot  /lo=0  /hi=40  ill,il2,il3, vld  /hi=400 
s  tstop  =  0.1 
s  hfl  =  0.0 
s  hf2  =  0.0 
s  hf3  =0.0 
start 

s  pit  =  2  . 

plot  /lo=0  /hi=40  ill,  /hi=60  il2,il3,vld  /hi=400 
end 


!  Second  study:  steady  state  conditions,  unequal  reference  voltages 
proced  two 
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s  tstop  =  0.02 
s  Vrefl  =  280. 
s  Vref2  =  300. 
s  Vref3  =  320. 
start 
s  pit  =  3 
s  devplt  =  5 
plot  ill, il2, il3, vld 
s  hfl  =  0 
s  hf2  =  0 
s  hf3  =  0 
start 
s  pit  =  4 

plot  ill, il2, il3, vld 
end 

j*****************^**********rfr******Tfc********^**********^***********St*** 

!  Third  study:  step  change  in  load  from  100%  to  20%  rated  load  with 
three 

1  converters  online, 
proced  down 

s  tstop  =  0 . 005 

s  RLD  =3.33  !  100%  load  for  3  converters 

start 

s  devplt  =  5 
s  nrwitg  =  .true, 
s  tstop  =  0.02 

s  RLD  =16.67  !  20%  load  for  3  converters 

contin 

s  nrwitg  =  .false, 
s  pit  =  10 

plot  /lo=0  /hi=60  ill,il2,il3,ild  /hi=120 
!  pause 
s  pit  =  11 

plot  vcl, vc2, vc3, vld 
end 

j  ***’*★★*★*★★*★*★**★★★***★*★★★**★*★***★*★★******★★*•*■■*■**★*★•*★*★*****★★•*■*★★ 

!  step  from  100%  to  20%  load 
proced  up 

s  tstop  =  0.005 

s  RLD  =16.67  !  20%  load  for  3  converters 

s  iLlic  =  3.8 
s  il2ic  =  3.8 
s  il3ic  =  3.8 
s  vClic  =  300. 
s  vc2ic  =  300. 
s  vc3ic  =  300. 
s  xlic  =  0.0239 
s  x2ic  =  0.0239 
s  x3ic  =  0.0239 
s  wrmsic  =  16349. 
start 

s  nrwitg  =  .true, 
s  tstop  =  0.01 

s  RLD  =3.33  !  100%  load  for  3  converters 

contin 
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s  nrwitg  =  .false, 
end 

proced  on 
s  RLD  =  10. 
s  Vinl  =  0. 
s  iLlic  =  0. 
s  iL2ic  ^  13.49 
s  iL3ic  =  13.49 
s  vClic  =  275.4 
s  vC2ic  =  275.4 
s  vC3ic  =  275.4 
s  xlic  =  9.06 
s  x2ic  =  0.028 
s  x3ic  =  0.028 
s  wrmsic  =  18782.5 
s  tstop  =  0.005 
start 

s  Vinl  =  400. 
s  tstop  =  0.01 
s  nrwitg  =  .true, 
contin 

s  nrwitg  =  .false. 

!  s  pit  =  12 
!  s  devplt  =  5 
plot  ill,il2,il3,ild 
pause 

!  s  pit  =  13 
plot  vcl, vc2, vc3, vld 
end 

I  ★**★*★★***★********★★★***★★★**★★★****★****★★★*•*•★★*★****★★★★*★*★*★***★** 

!  Fourth  study:  three  converters  online,  one  is  powered  down  abruptly 
proced  off 
s  RLD  =  10. 
s  iLlic  =  19.5 
s  iL2ic  =  19.5 
s  iL3ic  =  19.5 
s  vClic  -  300. 
s  vC2ic  =  300. 
s  vC3ic  =  300. 
s  xlic  =  0.03 
s  x2ic  =  0.03 
s  x3ic  =  0.03 
s  wrmsic  =  25116.8 
s  tstop  =  0.005 
start 

s  Vinl  =  0. 
s  tstop  =  0.02 
s  nrwitg  =  .true, 
contin 

s  nrwitg  =  .false, 
s  pit  =  12 
s  devplt  =  5 
plot  ill, il2, il3, ild 
!  pause 
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s  pit  =  13 

plot  vcl, vc2, vc3, vld 
end 
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APPENDIX D:  DATASHEETS 


A.  AD536A  TRUE  RMS-TO-DC  CONVERTER 


ANALOG 

DEVICES 


features 

Triift  RMSAo'bC  Conv«r«ion 
User-trimmed  to  Hiflih  Accuracy 
0:2%  max  Error  (ADSaSAK) 

0.5%  max  Error  |AD536AJ) 

Wide  Response  Capability: 

Computes  RMS  of  AC  and  DC  Slgnafs 
450  kHz  Bandwidth:  V  rms  >  100  mV 
2  MHz  Bandwidth:  V  rms  >  1  V 
SIflnal  Crest  Factor  of  7  for  1%  Error 
dB  Output  with  60  dB  Range 
tow  Power:  I.ZmA  Quiescent  Current 
Single  or  Dual  Suf^iy:  Operation 
Monolithic  Integrated  Circuit 
-55"C  to  +125*C  Operation  {AD536AS) 


PRODUCT  DESCRIPTION 

The  AD536A  is  a  complete  monnlithic  integrated  dreuit  which 
performs  true  rros-to-dc  conversion.  It  offers  performance  which 
is  comparable  or  superior  to  that  of  hybrid  or  modular  units 
costing  much  more.  The  AD53<5A  directly  computes  the  true 
nm  value  of  any  complex  input  waveform  containing  ac  and  dc 
components.  It  has  a  crest  factor  compensation  sdseme  which 
allows  measurements  with  1  %  error  at  crest  factors  up  to  7.  The 
wide  bandwidth  of  die  device  extends  the  measurement  capabi¬ 
lity  to  300  kHz  widi  3  dB  error  for  signal  levds  above  100  raV, 

An  important  feature  of  the  ADS  36  A  not  previously  available  in 
rms  converters  is  an  auxihary  dB  output  The  Ip^rithm  of  die 
rms  output  si^al  is  brou^t  out  to  a  separate  pin  to:  allow  the 
dB  Conversion,  with  a  useful  dynamic  range  of  60  dB.  Using  an 
extcrrially  supplied  riicrence  current,  the  O  dB  level  can  be  con¬ 
veniently  set  by  die  user  to  cenespond  to  any  input  level  irom. 

Oi  l  to  2  volts  rms. 

The  Ab536A  is  laser  laimmed  at  the  wafer  Icvd  input  and 

output  of&ci,  positive  and  negative  waveform  syimnetiy  (dc  re¬ 
versal  error),  and  full-scale  accuracy  at  7  V  rms.  As  a  result^  no 
external  trims  arc  required  to  adiicve  the  rated  accuracy  Of  die 
unit 

Thefe  is  fun  protection  for  both  inputs  and  outputs.  The  input 
dreuirry  can  take  overload  voltages  wdl  beyond  the  supply  lev¬ 
els.  Loss  of  supply  voltage  with  inputs  connected  will  not  cause 
unit  failure.  The  output  is  short-cinniit  protected. 

The  AD536A  »  available  in  two  accuracy  grades  Oj  K)  for  com- 
mcrdal  tcmpeiatuxc  range  i[a®C  to  +70*C)  appheations,  and 
one  grade  (S)  rated,  for  the  «-55*C  to  +1 25*C  extended  range. 
The  AD536AK  offers  a  maximum  total  error  of  ±2  mV  ±0.2% 
cf  rwding,  and  die  AD536AJ  and  AD536AS  have  madmum  er¬ 
rors:  of  ±5  mV  io.5%  of  reading.  All  three  versions  are  available 

REV.  A 

Information  fummhed  byAnalog  Devices  b  believed  to  be  accurate  and 
reliable.  However,  no  responsibility  is  assumed  by  AMlog  Devices  for  Its 
use,  norfor  any  infringixnenls  of  patent*  or  other  rights  of  third  parties 
which  may  result  from  to  use.  No,  license  fe  grarasd  by  impllcolion  or 
otherwise  under  arty  patent  or  patent  rights  of  Analog  Devices. 


Integrated  Circuit, 
True  RMS-to-DC  Converter 

AD536A 

PIN  CONHGURATIONS  AND 
niNCnONAL  BLOCK  DIAGRAMS 

TO-tl6  (D-U)  and  TO^lOO  (H-10A> 

Q-I4  Package  Package 


in  other  a  hermetically  sealed  14-pin  DIP  or  1 0-pin  TO-l  00 
metal  can.  The  AD536AS  is  also  available  in  a  20-pm  homeu- 
cally  sealed  ceramic  leadlcss  chip  carrier. 


PRODUCT  HIGHUGHTS 

1.  The  AD536A  computes  fee  true  root-mean-square  level  of  a 
complex  ac  (or  ac  plus  dc)  input  rignal  and  gives  an  cquiva- 
lent  dc  ouqjut  level  The  true  rms  value  of  a  waveform  is  a 
more  usefii  quantity  than  fee  average  rectified,  value  since  it 
relates  directly  to  fee  power  of  the  signal.  The  rm$  value  of  a 
statistical  signal  also  relates  to  its  standard  deviation. 

2.  The  crest  feefor  of  a  waveform  h  fee  ratio  of  fee  peak  signal 
swing  to  fee  rms  value.  The  crest  foctor  compcnsaiion 
scheme  of  fee  ADS  36  A  allows  measur^dnt  of  hi^y  com¬ 
plex  signals  wife  wide  dynamic  range. 

3.  The  only  external  component  required  to  perform  measure¬ 
ments  to  the  folly  specified  accuracy  is  the  capacitor  which 
sets  the  averaging  period.  The  value  of  this  capadior  detser- 
mines  fee  low  frequency  ac  accuracy,  ripple  level  and  settling 
time. 

4.  The  AD536A  will  operate  equally  well  from  split  supplies  or 
a  single  supply  with  total  supply  levels  from  5  to  36  volts. 

The  one  milliainpcrc  quiescent  supply  cunent  makes  the  de¬ 
vice  wdl-suitcd  for  a  wide  varied  of  remote  controllers  and 
battery  powered  instruments. 

5.  TheAD536A  directly  replaces  fee  AD536  and  provides  im¬ 
proved  bandwidth  and  tcnqjcrature  drift  spcdScations. 

OiMT«dim>logyWay,P.D.  Box »D6, Norwood,  MA 02062-9106,  U.5A 

Tol:  617/329-4700  Fax:  817/326-8703 
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AD536A““SPECI FI  CATI ONS®  +25*1;,  ami  ±15 V  dc  unless  ottierwisfl  noted) 


Uodel 

AUn 

ADM«AJ 

Typ 

.Max 

.Min 

A05X5AX 

Typ 

Mm 

.Min 

AJDiJdAS 

t>f 

.Mht 

Units 

transfer  FUSenOK 

.1 _ _  V 

” 

CONVHRStON  accurac;y 

Total  Error,  IntematTrim* 

±510.5 

±3  ±0.2 

±5  ±0.5 

mV  ♦  5»  of  Reading 

±0.1  ±0.01 

tO.O510.OC5 

±0.1  ±0.605 

mVt  %orRcad!r.p/C 

+70»C  U)+!2S»C 

±0.3  ±0.605 

»V±  S  nrK€admp.-C 

va.  Supply  Voter  jft 

tc.l  19.C1 

±0.1  ±0.01 

lOl+O.O! 

MV±%<>rRead!n[tV 

dc  Revcraal  Error 

io.: 

±0.1 

±9.2 

t  *A  pf  Reading 

Total  Error,  Extetcal  Trim'  fP>|cu«S/ 

iJiaj 

±2  to.) 

1310.3 

mV  1  M  of  Reading 

ERKOl!  VS.  CREST  FACTOBf' 

Cmt  Factor  t  to  2 

Sn<dfied  Accurvey 

Acru  r>  cy 

Sfcc^r^crt  A^cvT>cy 

Creai  Factor  =  7 

~0.t 

0.1 

-0.1 

♦i  of  Reeding 

Crest  Par-or  k  7 

-1.0 

-1.0 

-1.0 

Fi  of  Reeding 

FREQUENCY  RESPONSE^ 

Banilvkidch  fsr  Additiona;  Error  <9.0S  d9^. 

S  10  mV 

5 

5 

kHz 

Vti=  too  mV 

45 

45 

45 

kHz 

1=  1  V 

120 

i2r 

150 

kllr 

dn  nmdwidis 

V;j,  =  10  mV 

«0 

40 

00 

kHz 

V;h«  IOC  mV 

45J 

45C 

450 

kHz 

Vnr=lV 

2.3 

2.3 

2.5 

MHz 

AVERAGNO  TIME  COKST.ANT  a‘i«vtre  S) 

1  »  ^ 

1 

r.A*.' 

rWPCT  CHAR,\CTERIST]CS 

.V'i^l  Ranjjf,  tl<  V  Supplica 

CtaitRMtoua  mu  lave] 

0  tc. : 

9w7 

0i.>7 

V  rme 

Prate  Trmtaleot  Input 

♦20 

±20 

tao 

Vptek 

Canuniaua  nna  LrreJ,  ti  V  Supp^iet 

0u<2 

0  loC 

Cto5 

V  mr. 

PcaVTraajfcBt  bputilS  V Supplim 

±7 

±7 

17 

V  peak 

(Maximtim  Cnnttno.vjs  NmdcMructIve 

Ispm  Level  fAB  Supply  VoltigeO 

±55 

125 

153 

VpeaV 

Input  Rcaiitance 

1303 

I0A7 

20 

13.35 

i&-67 

20 

1.3.33 

16.157 

20 

fcG 

Input  Offset  Vekase 

O.Jt 

t2 

0.5 

±1 

OJ 

±2 

mV 

OmrUT  CH-VRACTERlSnCS 

bbBI 

Offaet  Veteapr,  V.-jO  COM  (Fipire  1) 

±0.5 

±t 

♦2 

mV 

w.  Temperantri 

±e.s 

±0.1 

mV.»C 

va.  Supply  VoltaRe 

to.l 

±0.2 

mV.V 

VoteajtrSiain;^  1 15  V  Sup-plKi 

EBO 

#ro+lI 

+15.5 

oto+n 

♦  12.5 

t5  V  Supply 

BEB 

HHHHH 

o»+: 

C  tu  +5 

V 

dR  OUrr-JT  (Piyjre  13) 

^BHim 

Emir.  Vp,7  mV  to  7  V  nw,  0  dH  =  1  V  rm» 

d» 

Scale  Factor 

wV.'dB 

Scale  Factor  TC  (UDCWnpetwa'ted,  aee  Piy- 

ure  1  for  TcrtpcraiUTr  Corepenaation 

dB’C 

MofReadhtf^ 

Iir.yforO  4B  *  *  V  ms. 

llA 

W  RatRc 

BB 

HH 

HA 

Vir'niRAtIN’AL 

■null 

lot.f»  Scale  Factiir 

ItAVrnre 

I^.t>  Scale  Factor  Tole  fence 

H 

Output  Rcatettnce 

t£i 

Voltage  CcmpFiace 

B|^^H 

HH 

IHHI 

bqsshi 

V 

BUFFER  AM  PUril-K 

fepui  and  Output  Voliatte  Range 

-V,to(4V, 

-V,m(4V, 

-V,to(*Y, 

V 

-5.5  S-) 

-3.5  V) 

-2.5  V) 

Input  Offaet  Veltap,  R.  »  25  k 

*e.5 

14 

±05 

±4 

10.5 

±4 

mV 

Input  Bias  Current 

20 

40 

30 

40 

ao 

40 

n.A 

Input  Rcaatance 

10* 

IP* 

10* 

C 

Ouipta  Curent 

(♦5  01.A. 

(♦5  mA, 

<45  «A, 

-150  iu\) 

-ISOpA) 

-IDOiA) 

Short  Citeutt  Currrr.t 

2D 

30 

30 

m.A 

&atpw  Realatance 

0.5 

0.5 

0.5 

a 

Small  Slfcnal  Bandwidth 

1 

1 

1 

MHa 

Slew  Rate* 

5 

5 

5 

V,> 

rOVPER  SUPPLY 

Vohage  Rated  Fetfttnmanee 

il5 

±15 

±15 

V 

Dual  Supply 

±s.o 

11* 

txo 

±IS 

±3.0 

±1* 

V 

Singk  Supply 

+5 

♦3« 

*5 

♦34 

45 

♦36 

V 

Qaietecut  Current 

Tctal  V».  5  V  to  3A  V,  T*cst  to  TK^x 

UZ 

a 

1.2 

3 

1.2 

2 

niA 

TEMPElLVrURE  RANGE 

Rand  IViformancc 

0 

♦70 

0 

+70 

-55 

♦  125 

•r. 

Storage 

-55 

♦  150 

-55 

♦150 

-55 

+150 

♦c 

NUMBER  OF  TRANSISTORS  | 

i _ « _ ! 

1 _ « _ 1 

1 _ « _ 

PAOLAOEOrnONS 

CmrafcDlP  CO-H) 

ADS30.MT1 

.AD53<SAKI> 

AD536ASH 

Metal  Can  TO- 1 90  (H-l  OA) 

AD«30AJH 

AD53SAKH 

M>54ft.ASH 

LCC  (E-20A) 

AD534ASE 

NOTES 

^A«u«(y  m  qweVkd  a>r  0  V  lo  7  V  nw.  de  or  J  Wh  A«  wtxe  bpat  with  thr  AD536A  cuonrcled  *a  ic  the  fgcure  rtfertnetd. 

^Emw  v».  cent  factor  ii  rtpcctfied  m  as  additional  error  for  1  V  nna  cccUn^Ur  pu)*e  ktpe^t,  pibe  widilt  =  3C0lta. 

^Saputrolnitet  are  espreaacd  invohama,  and  error  bpcrecitt  of  read inx- 
2t>  encnal  pull-dowe  rtairtor. 

^pMificadoaa  Mhjcci  |«  dtanjic  atidiouc  soikc. 

Spedfleatfonr  rborm  b  baldCaoa  are  taated  oa  aD  praduction  onitr  at  firu!  «k«vva)  teat  fUmtu  fion  ibew  terta  ate  «a«4  to  cakulate  outfoiaft  ^a]hr  kvrb  All  min  and  max  apectflcatlont  are  ipuraateed. 
although  oniT  tbOM  dsourt  m  hoWface  are  teated  on  a!]  rroducrien  nniea. 
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Applying  the  AD536A 


ABSOLUTTE  MAXIMUM  RATINGS' 


Supply  Voltage 

Dual  Supply  . . .  . . . ±  1 8  V 

Single  Supply  . . . . . . +36  V 

Intanal  PowerDissipa^on®  .  500  mW 

Maximum  input;  Voltage  . ±25  V  Peak 

Buffer  Maximum  input  Voltage  . . .  ±Vs 

■Maximum  input  Voltage  : ; . . .  ±25  V  Peak 

StomgeTempcramre Range  ............  -55®C  to  +150®C 

Operating  Tmpcranire:  Range 

AD536AJ/K  . . . . . . O^C  to  +70“C 

AD536AS . . . .  -55“C  to  +125*C 

Lead  Temperature  Range 

(Soldering  60  see)  . +300“C 

BSD  Rating . .  1000  V 


NOTIiS 

‘Stresses  shove  those 'listed  under  “AhsoJutc  Mserimum  Rstmgs”  iruiy  cause 
pernanenr  diinifligc  to  the  device.  This  is  a  satss  racag  only  and  funcuonal 
operation  orthe  device  at  these  or  any  other  condition.s  above  those  indicated  in  the 
opexaiional  secn'nr.  of  this  speciScatiou  is  not  {ii:ipUed.  Exposure  to  absolute 
:  masdtnum  ratma  ctaidsdons  for  extended  periods  may  aCTca  device  rcKaMitv. 
^lO-rPin  Header  ISO’CVW 
20-Pm  LCC:  %- 

l+Fin  Siac  Brazed  Ceramic  DIP:  0pi^  =  95*0^, 

CHIP  DIMENSIONS  AND  PAD  LAYOUT 

Dimenstoaf  shown  in  inches  and  (mm). 


ORDERING  GUIDE 


Model' 

Ten^erntore 

Ran^ 

Paaaige 

Detcrtptioil 

Padbige 

optioti 

AD53S.4JD 

0«C  to  +70«C 

Side  Brazed  Ceramic  DIP 

D.14 

AD53<»AKD 

oxto+Tirc 

Side  Brazed  Cenmic  DIP 

D-H 

AD536AJH 

0«Cto'J^70"C 

Header 

H-iOA 

AD536AKH 

D^Cto+VO^C 

Header 

H-TOA 

AD53eAJQ 

0“C  to  +70«c 

Cetdip 

Q-14 

ADSaOAKQ 

b*C  to  +70*c  ; 

■Cerdip 

Q-H 

AD53eASD 

-55*C  to +125*C 

Side  Brazed  Ceranjic  DIP 

D14 

AD536ASiD/883B 

-55‘’C  tD+12^C 

Side  Bnoed  Ceramic  DIP 

D-H 

AD536ASE 

-55"Cto+l25“C 

UCC 

E-20A 

AD536ASE/883B 

-ss'Cto+ias-c 

LCC 

E-20A 

ADS36ASH 

>t55*C  to +n5*C 

Header 

H-lOA 

AD536ASHrti83B 

-5rC»+l2S*C 

Header 

H-lOA 

NOTE 

’•S”.  8«ide  c!np»  «re  swailsWe  tested  *i  ■♦•2S*C  and +125^  T*  iwte  chips  «  sho  availahk. 
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STANDARD  CONNECTION 

'rhe  AD536A  is  simple  to  connect  for  the  Tuajority  of  high  accu¬ 
racy'  nns  measuremenTs>  requiring  only  an  tsetemsi  capacator  to 
act  the  averaging  time  constant  ITie  standard  connection  is 
shown  in  Figure  1.  In  this  configuradon,  the  AD536A  will  mea¬ 
sure  the  nns  of  the  ac  and  dc  level  present  at  the  input,  but  will 
show  an  crror  for  low  frequency  inputs  as  a  function  of  the  filter 
capacitor,  Cavj  as  {diown  in  Figure  5.  Thus,  if  a  4  pF  capacitor 
is  used,  the  additional  average  aror  at  10  Hz  wllbe  0.1%,  at 
3  Hz  it  will  be  1%.  The  accuracy  at  higher  frequencies  will  be 
according  to  specification.  If  it  is  desired  to  reject  the  dc  input,  a 
capacitor  is  added  in  series  with  the  input,  as  shown  in  Figure  3, 
the  capacitor  must  be  nonpolar.  If  the  AD536A  is  driven  with 
power  supplies  with  a  considerable  amount  of  high  frequency 
ripple,  it  is  advisable  to  bypass  both  supplies  to  ground  with 
0.1  nF  ceramic  discs  as  near  the  device  as  possible. 


Figure  f.  Standard  ff AfS  Conncct/on 
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AD536A 

'llic  inpui  and  output  signaj  ranges  are  a  function  of  the  supply 
voltages;  these  ranges  are  shown  in  Figure  14.  'Fhc  AD536A  can 
also  be  used  in  an  unbuffered  voltage  output  mode  by  discon¬ 
necting  the  input  to  the  buffer.  The  output  then  appears  unbuf¬ 
fered  across  the  25k  resistor.  The  buffer  amplifier  can  then  be 
used  for  other  purposes.  Further  the  AD536A  can  be  used  in  a 
current  output  mode  by  disconnecting  the  25  k  resistor  from 
ground.  The  output  current  is  available  at  Pin  8  (Pin  1 0  on  the 
“H’’  package)  with  a  nominal  scale  of  40  jlA  per  volt  rras  input 
positive  out. 

OPTIONAL  EXTERNAL  TRIMS  FOR  HIGH  ACCURACY 
If  it  is  desired  to  improve  the  accuracy'  of  the  AD536A;  the  ex¬ 
ternal  trims  shown  in  Figure  2  can  be  added.  R4  is  used  to  trim 
die  offset.  Note  that  the  offset  trim  circuit  adds  .365  fi  in  scries 
with  the  internal  25  kO  resistor.  This  will  cause  a  1 .5%  increase 
in  scale  factor,  which  is  trimmed  out  by  using  R1  as  shown. 
Range  of  scale  factor  adjustment  is  ±  1 .5%. 

The  trimming  procedure  is  as  follows; 

1.  Ground  the  input  signal,  and  adjust  R4  to  give  zero 
volts  output  from  Pin  6.  Alternatively,  R4  can  be  adjusted  to 
give  the  correct  output  with  the  lowest  expected  value  of  Vjx. 

2.  Connect  the  desired  full  scale  input  level  to  V|s,  citlicr  dc  or 
a  cidibrated  ac  signal  (1  kHz  is  Ac  optimum  frequency); 
then  trim  Rl,  to  give  the  correa  output  from  Pin  6,  i.c., 
1000  V  dc  input  should  give  LOGO  V  dc  output.  Of  course,  a 
±  1 .000  V  pcak-io-peak  sine  wave  should  give  a  0.707  V  dc 
ou^ut.  The  remaining  errors,  as  given  in  the  specifications 
are  due  to  the  nonlinearity. 

The  major  advantage  of  external  trimming  is  to  optimize  device 
performance  for  a  reduced  signal  range;  the  AD536A  is  inter¬ 
nally  trimmed  for  a  7  V  rms  full-scale  range. 


Figure  2,  Optionai  External  Gain  and  Output  Offset  Trims 
SINGLE  SUPPLY  CONNECTION 

The  applications  in  Figures  1  and  2  require  die  use  of  approxi¬ 
mately  symmetrical  dual  supplies.  The  ADS 36 A  can  also  be 
used  with  only  a  single  positive  supply  down  to  +5  volts,  as 
shown  in  Figure  3.  The  major  limitation  of  this  connection  is 
ffiat  only  ac  signals  can  be  measured  since  the  differential  input 
stage  must  be  biased  off  ground  for  proper  operation.  This  bias¬ 
ing  is  done  at  Pin  10;  thus  it  is  critical  that  no  extraneous  signals 
be  coupled  into  this  point.  Biasing  can  be  accomplished  by  us¬ 


ing  a  resistive  divider  between  +V5  and  ground.  The  values  of 
the  resistors  cm  be  increased  in  the  interest  of  lowered  power 
consumption,  since  only  5  mA  of  current  flows  into  Pin  1 0 
(Pin  2  on  the  “H”  package).  AC  input  coupling  requires  only 
capacitor  C2  as  shmvn;  a  dc  return  is  not  necessary'  as  it  is 
provided  internally.  C2  is  selected  for  the  proper  low  frequency 
break  point  with  the  input  resistance  of  16.7  kQ;  for  a  cutofl  at 
10  Hz,  C2  should  be  1  pF.  Tlie  signal  ranges  in  this  connection 
are  slightly  more  reatriacd  than  in  the  dual  supply  connection. 
The  input  and  output  signal  ranges  aj-e  shown  in  Figure  1 4.  The 
load  resistor,  Ri,  is  necessary  to  provide  output  sink  current. 


Figure  3.  Single  Supply  Connection 

CHOOSING  THE  AVERAGING  TIME  CONSTANT 
The  AD536A  will  compute  the  rms  of  both  ac  and  dc  signals.  If 
die  input  is  a  slowly-varying  dc  signal,  the  output  of  the 
AD536A  will  track  the  input  exactly.  At  higher  frequencies,  the 
average  output  of  the  AD536A  will  approach  die  rms  value  of 
the  input  signal.  The  actual  output  of  the  AD536.A  will  differ 
from  the  ideal  output  by  a  dc  (or  average)  error  and  some 
amount  of  ripple,  as  demonstrated  in  Figure  4. 


IDEAL 

to 


DC  ERnoa  «■  Eo  -  En  (IDEAL) 


DOUBLE -FftEOUENCV 

wmc 


Figure  4.  Typical  Output  Waveform  for  Sinusoidal  Input 
'fhe  dc  error  is  dependent  on  die  input  signal  frequency  and  die 
value  of  CaV'  Figure  5  can  be  used  to  detcimine  the  minimum 
value  of  Cav  which  will  yield  a  given  percent  dc  enor  above  a 
given  frequency  using  the  standard  rms  connecdon. 

The  ac  component  of  the  output  signal  is  the  ripple.  There  are 
wo  ways  to  reduce  the  ripple.  The  first  method  involves  using  a 
large  value  of  Cav-  Since  tihe  ripple  is  invcnely  proportional  to 
Cav>  a  tenfold  increase  in  this  capacitance  will  affect  a  tenfold 
reduction  in  ripple.  When  measuring  waveforms  with  high  crest 
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lactorSy  (such  as  low  duty  cycle  pulse  trains):  the  averaging  time 
constant  should  be  at  least  ten  times  the  signal  period.  For  ex¬ 
ample,  a  1 00  Hz  pulse  rate  requires  a  100  ms  time  constant, 
which  corresponds  to  a  4  pF  capacitor  (time  constant  =  25  ms 
perpF)' 

The;  primary  disadvantage  in  using  a  large  C^v  to  remove  ripple 
is  that  the  settling. rime  for  a  st^:  change  in  input  levd  isdn- 
creased  proporrionat^y.  Bguxc  5  shows  that  the  relationship 
between  Cav  arid  1%  settling  rime  is  115  milliseconds  for  <ach 
microfarad  of  Cav-  The  settling  time  is  twice  as  great  for  de¬ 
creasing  signals  as  for  increaring  signals  (the  vahies  in  Figure  5 
are  for  deerwsirig  signals).  Settling  time  also  increases  for  low 


INPUT  fttEQUINCV-Hi 


The  two-pole  post-filter  uses  an  active  filter  stage  to  provide 
even  greater  tipple  reduction  without  substantially  increasing 
the  settling  times  over  a  circuit  with  a  one-pole  filter,  'rhe  values 
of  Cav,  C2,  and  C3  can  riien  be  reduced  to  allow  extremely  fast 
setding  times  for  a  constant  amount  of  ripple.  Caution  should 
be  exercised  in  choosir^  the  value  of  Cav>  since  the  dc  error  is 
dependent  upon  this  value  and  is  independent  of  the  post  filter. 

For  a  more  detailed  explanation  of  these  topics  lefcr  to  the 
RMS  to  DC  Convenion  Application  Guide  2nd  Edition,  available 
from  Analog  Devices. 


figure  7.  2-Poie  "'Post"  filter 


Figure  5.  Error/Settling  Time  Graph  for  Use  with  the  Stan¬ 
dard  rms  Connection  in  Figure  1 


Figure  6.  Settling  Time  vs.  Input  Level 

A  biMtcr  method  fur  reducing  oui^u  t  ripple  is  the  use  of  a 
“post-filter.*  Figure  7  shows  a  suggested  dreuit.  If  a  ringle-pole 
filter  is  used  (C3  removed,  Rx  ^ntted),  and  C2  is  approximately 
twice  the  value  of  Gav»  riie  ripple  is  reduced  as  shown  in  Figure 
8  and  settling  time  is  increased.  For  exunple,  with  CaV  r=  1  |iF 
and  C2  “  2.2  |iF,  the  ripple  for  a  60  Hz  input  is  reduced  fiom 
;i0%  of  readings  approximately  03  'fhe  settling 

time,  howevar,  is  increased  by  approximately  a  feetbr  of  3.  The 
values  of  Cav  arid  C2,  csih,  therefore,  be  reduced  m  pdink  fasttir 
settlii^  times  white  still  providii^  substantial  ripple  reduction. 


Figure  8.  Performance  Features  of  Various  Filter  Types 


AD536A  PRINaPLE  OF  OPl^TIGN 
The  AD536A  embodies  an  in^lidt  solution  of  the  rms  equation 
that  overcomes  the  dynanuc  range  as  well  as  other  limiiarions 
inherent  in  a  straightforward  computation  of  rms.  The  actual 
:  computation  performed  by  the  AD536A  follows  the  equation: 

y  rms^f 
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Figure  9  is  a  simplified  schematic  of  the  AD536A;  it  is  subdi¬ 
vided  into  four  major  sections:  absolute  value  ciroiit  (acme  rec¬ 
tifier),  squarcr/dividcr,  current  mirror,  and  buffer  amplifier.  The 
input  voltage,  Vjj-,  which  can  be  ac  or  dc,  is  converted  ro  a  uni¬ 
polar  current  Ij,  by  the  active  rectifier  Aj,  Aj-  It  drives  one  input 
of  the  squarcr/dividCTj  which  has  the  transfer  function: 

The  output  current,  I4,  of  the  squarer/dividerdriv’es  the  current 
mirror  throu^  a  low-pass  filter  formed  by  R3  and  the  externally 
connected  capacitor,  Cav-  If  the  Rl,  Cav  tinic  constant  is  much 
greater  than  the  longest  period  of  the  input  signal,  then  U  « 
dTcctiveT>’  averaged.  The  current  mirror  returns  a  current  I3, 
which  equals  Avg.  [I4I,  hack  to  the  squarct^divider  to  complete 
the  implicit  rms  computation.  Thus: 

I4  -  Avg.  ] »  /;  mi5 


The  current  mirror  also  produces  the  output  current.  lour, 
which  equals  2I4.  lour  can  be  used  directly  or  converted  to  a 
voltage  with  R2  and  buffered  by  A4  to  provide  a  low  impedance 
voltage  output.  'Fhe  transfer  function  of  the  AD536A  thus 
results: 

The  dB  output  is  derived  from  the  emitter  of  Q3,  since  the  volt¬ 
age  at  this  point  is  proportional  to  -log  Vi^.  Emitter  follower, 

Q5,  buffers  and  level  shifts  this  voltage,  so  that  the  dB  output 
voltage  is  zero  when  the  externally  supplied  emitter  current 
CIrcf)  Q5  approximates  1^. 

CONNECTIONS  FOR  dB  OPERATION 
A  powerful  feature  added  to  the  AD536.A  is  the  logarithmic  or 
decibel  output.  The  iniemal  circuit  computing  dB  works  accu¬ 
rately  over  a  60  dB  range.  The  connections  for  dB  measure¬ 
ments  arc  showm  in  Figure  10.  The  user  selects  the  0  dB  level  by 
adjusting  Rl,  for  the  proper  0  dB  reference  current  (which  is  set 
to  exaaly  caned  the  log  output  current  from  the  squarer-dividcr 
at  the  desired  0  dB  point),  'fhe  external  op  amp  is  used  to  pro¬ 
vide  a  more  convenient  scale  and  to  allow  compensation  of  the 
+0.33%'*C  scale  factor  drift  of  the  dB  output  pin.  The  special 
T.C.  resistor,  R2,  is  available  from  Tel  Labs  in  Ixjndondcrry, 
N.H.  (model  (^-81)  or  from  Precision  Resistor  Inc.,  Hillside, 
N.J.  (model  PTH6).  The  averaged  temperature  coefficients  of 
resistors  R2  and  R3  develop  the  +3300  ppm  needed  to  reverse 
compensate  the  dB  output.  The  linear  rms  output  is  available  at 
Pin  8  on  DIP  or  Pin  1 0  on  header  dwice  with  an  output  imped¬ 
ance  of  25  kfli  thus  some  applications  may  require  an  additional 
buffer  amplifier  if  this  output  is  desired. 

dB  Calibration: 

1 .  Set  V(N  =  i  .00  V  dc  or  1 .00  V  rms 

2.  Adjust  Rl  for  dB  out  =  0.00  V 

3.  SctVis-=  +0.1  VdcorO.lOV  rms 

4.  Adjust  R5  for  dB  out  =  -2.00  V' 

Any  other  desired  0  dB  reference  level  can  be  used  by  setting 
and  adjusting  Rl,  accordin^y.  Note  that  adjusting  R5  for 
the  proper  gain  automatically  gives  the  correct  temperature 
compensorion. 


Figure  10,  dB  Conr>ecthn 
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FREQUENCY  RESPONSE 

The  AD536A  titili7es  a  loganthinic  circuit  in  perfonning  the  im¬ 
plicit  rms  computation:  As  with  any  log  circuit,  bandwidth  is 
proportional  to  signalle^'irf.  The  solid  lines  in  the  graph  below 
represent  the  frequency  response  of  die  AD536A  at  input  levels 
from  I  d  millivolts ;to  7  volts  nns^.  The  dashed  lines  indicate  the 
tipper  frequenty  Knucs^^t^  1%,  10%,  and  3  dB  of  readir^  addi¬ 
tional  error.  For  example,  note  that  a  1  volt  mis  signal  will  pro¬ 
duce  less  dian  I  %  of  reading  addition^  error  up  to  120  kHz.  A 
10  millivolt  signal  can  be  measured  with  1  %  of  reading  addi¬ 
tional  error  (100  flV)  up  to  only  5  kHz. 
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figure  11.  High  Frequency  Response 
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Figure  12,  Error  vs.  Crest  Factor 
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AC  MEASUREMENT  ACCURACY  AND  CREST  FACTOR 
Crest  factor  is  often  ovcrlpokai  in  determining  the  accuracy  of 
an  ac  measuxemenL  Crest  fector  is  defined  as  die  ratio  of  the 
peak  signal  amplitude  to  the  rms  value  of  the  signal  (CF  =  \V 
V  rms).  Most  common  waveforms,  such  as  sine  and  triangle 
wavesy  faave  relativdy  low  crest  factors  (<2).  Waveforms  which 
rcsemblc  low  dunr  cyde  pulse  trains,  such  a.s  those  occurring  in 
switching  power  suppKes  and  SCR  circuitt,  have  high  crest  fac¬ 
tors.  For  example,  a  rectangular  pulse  train  with  a  I  %  duty 

cycle  has  a  crest  factor  of  10  (CF  ==  I  ^  ). 

Figure  1 2  is  a  curve  of  reading  error  for  the  AD536A  for  a  1  volt 
rms  input  signal  with .  crest  factors  from  1  to  1 1 ,  A  rectangular 
pulse  train  (pulse  width  100  ps)  was  used  for  this  test  ,  since  it  is 
the  worst-case  wavefonn  for  rms  measuranent  (all  the  energy  is 
contained  in  the  pc^Jes).  The  duty  cycle  and  peak  amplitude 
were  variai!  to  produce  crest  fectors  from  Tio  11  while  main¬ 
taining  a  constant  1  volt  rms  input  amplitude. 


Figure  13.  AD536A  Error  vs.  Pulse  Width  Rectangular 
Pulse 


Figure  14.  AD536A  Input  and  Output  Voltage  Ranges 
vs.  Supply 
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OUTLINE  DIMENSIONS 

Dimcnijons  shown  in  inches  nna  'mm'- 
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AD534  INTERNALLY  TRIMMED  PRECISION  IC  MULTIPLIER 


ANALOG 

DEVICES 


Internally  Trimmed 
Precision  IC  Multiplier 


F^retrimmad  to  ±6.2S%  mwc  i-Quodrant  Error  (AD534L] 
m  Inputs  (X,  V  and  Zl  Diffararitialr  HIaH  Irnp^anco  for 
tfX, -Xj)  [Y, -YaUlO  VI +  Z*  Transfer  Function 
Scale>Factor  Adjustable  to  Provide  up  to  X100  Gain 
Low  Noise  Design;  $0  pV  rn»s,  1 0  Hz-1 0  kHz 
Low  Cost,  Monolithic  Construction 
Excellent  Long  Term  Stability 

APPLICATIONS 

High  Quality  Analog  Signal  Processing 
Differential  Ratio  and  Percentage  Computations 
Algebraic  and  Trigonometric  Punetion  Synthesis 
Wid  eba  nd,  H  i  gh-Crest  rms-to-dc  ConversI  on 
Accurate  Voltage  Controlled  Oscillators  and  Biters 
Available  in  Chip  Form 


TO-lOO  (H-lOA) 
Package 


XI 
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PRODUCT  DESCRIPTION 

The  AD534  is  a  monolithic  laser  trimmed  four-quadrant  multi¬ 
plier  divider  having  accuracy  specifications  preriously  found 
only  in  expensive  hybrid  or  modular  products.  .  A  maximum 
multiplication,  error  of  4:0.25%  is  guaranteed  for  the  AD534L 
without  any  external  trirntning.  Excellent  st^ply  rejection,  low 
temperature  coefifidents  and  long  term  stability  of  the  on-chip 
thin:  film  resistors  and  buried  Zener  refexcncc  preserve  accUraqr 
even  under  adverse  conditions  of  use.  It  is  the  first  muJfiplicr  to 
offer  fully  differential^  high  iu^edance  operation  on  all  inputs, 
induding  die  Z-input,  a  feature  which  greatly  increases  its  flex¬ 
ibility  and  ease  of  use;  The  scale  fectOr  is  pretrimmed  to  the 
standard  value  of  ]  0:00  Vj  by  means  of  an  external  resistor,  this 
can  be  reduced  to  values  as  low  as  3  V. 

The  wide  spectrum  Off  applications  and  flie  availability  of  several 
grades  commend  this. multiplier  as  the  first  choice  for  all  new 
idesi^s.  Thc  A053:4J  (±1%  max  error),  AD534K  (±0.5%  max) 
and  AD534L  (±  0.25%  max)  arc  spedfied  for  operation  over  the 
d^C  to +7p^G  iimiperature  range.  The  AD534S  (±I%  inax)  and 
AD534T  (±0.5%  max)  are  specified  over  die  extended  tempera- 
ture  range,  -55*G  to  +125*C.  All  grades  are  available  in  het- 
mcdcally  sealed  TO-1 00  metal  cans  arid  Td-Il  6  cetarnic  DIP 
packages,  AD534J,  K,  S  and  T  ch^s  are  also  available. 

PROVES 

’nie  AD534  is  the  first  general  purpose  multiplier  capable  of 
providing  gains  up  to  XlOO,  frequcniiy  eliminating  the  need  for 
sqiamte  instrumentatibh  arriplificrs  to  precondition  the  inputs. 
The  AD534  can  he  very  efic^vdy  employed  as  a  variable  gain 
differential  input  amplifier  with  high  common-mode  rejection. 
Thc  ^n  option  is  available  in  all  modes,  and  will  be  found  to 
simplify  the  implementation  of  many  function-fitting  sagotithms 
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such  as  those  used  to  generate  sine  and  tangent.  The  utility  of 
this  feature  is  enhanced  by  the  inherent  low  noise  of  the  AD534: 
90  pVj  tms  (d^ending  on  the  gain),  a  faaor  of  10  lower  than 
previous  monolithic  multipliers.  and  feedthrough  are  also 
substantially  reduced  over  cailier  designs. 

UNPRECEDENTED  FIJEXI^^ 

Tlie  precise  calibration  and  differential  Z-input  provide  a  degree 
of  flewbility  found  in  no  otiier  currently  available  multiplier. 
Standard  MDSSR  functions  Multiplication,  division,  squaring, 
square-rooting)  are  earily  implemented  while  the  restriction  to 
particular  mput/outpuc  polarities  inposed  by  earlier  designs  has 
been  eliminated.  Stgtuils  may  be  summed  into  the  output,  with 
or  without  gain  and  witii  either  a  positive  or  negative  sense. 
Many  new  modes  based  on  in^iicit-function  synthesis  have 
been  made  possible,  usually  requiring  only  external  passive  com¬ 
ponents.  The  output  can  be  in  the  form  of  a  current,  if  desired, 
facilitating  such  operations  as  intt^lion. 
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AD534-SPEC I  FI  C  ATI  ONS(@  t, = + 25%.  ±¥5 = « v.  r  s:  2  m) 


Modd 

AD$34J 

Min  Typ  Max 

AD534K 

Mln  Typ  Max 

Uoita 

ML'LTIPUER  FDIFOI^MANCE 

{x-A%xy.-y.)  j 

(y,~A%xy,'y,) , 

(X-A',Xn«V%> 

Transfer  Function 

10  y 

10'/  ■'* 

10  y 

Tntal  Errtsr^  (-10  Vil  X,  Y  S  +10  V) 

sl.O 

±0.5 

±0.5 

±0.25 

% 

Tyv  -  min  tn  max 

±1-5 

±1.0 

% 

Tcicl  Etroc  ^'!l.  T  empenicute 

±0.022 

±0.015 

±0.00S 

%/*c 

Scale  Factor  Error 

(SF=  10.000  VNomioal)* 

±0.25 

±0.1 

±0.1 

% 

Temperature- Coefndent  of 

Scaling  Voltage 

±0.22 

±0.01 

±0.005 

%yc 

Supplv  Rejection  (±15  V  ±  1  Vt 

±C.C1 

±0.01 

±0.01 

±0.12 

% 

Nonlinearity,  X  (X  =  20  V  p-p,  Y  =  10  V) 

±C.4 

±0.2  ±0.3 

±0.10 

% 

Ntmlinesirity,  Y  (Y  =  20  V  p-p,  X  =  10  V) 

±0,2 

±0.1  ±0.1 

±0.005 

±0.1 

% 

Fccdtbrocjh^  X  (Y  Nulled, 

X  =  20  V  p-p  50  Hz) 

Ftedthroush^  Y  (X  Nullw.1, 
y  =  20  V  p-p  50  His) 

±0.3 

±0.15  ±0.3 

±0.05 

±0.12 

% 

±0.C1 

±0.01  ±0.1 

±0.003 

±0.1 

% 

Output  0(T«ct  Valugc 

±5  ±30 

±2  ±15 

±2 

±10 

mV 

Output  onset  Vclugc  Drift 

2>X: 

100 

100 

gV.^C 

DYNAMICS 

MHz 

Small  Signal  HW  (Voirr  ~  0. 1  rms) 

1 

1 

50 

1  %  Amplitude  Error  (Cloao  ~  iOOC  pF) 

50 

?c 

kHz 

Slew  Rate  CV<xrr  20  p-p) 

20 

20 

20 

V\ii 

Settling  Time  (ea  I  %,  AVoit  =  20  V) 

2 

2 

2 

NOISE 

Noise  Spectral-Density  SP=  10  V 

0.8 

0.8 

0.8 

gV/vTiz 

SFwJV* 

0.4 

0.4 

0.4 

gV7'<H2 

Wideband  Noise  f  =  10  Hz  to  5  .MHz 

1 

1 

1 

mV.'jTttt 

f  ~  10  Hz  to  1C  kHz 

9C 

K 

90 

jiV/rms 

OLTPUT 

Output  Voluge  Suing 

±11 

±11 

±11 

V 

Output  Impedance  (fS  1  kHz) 

0.1 

0.1 

O.I 

0 

Output  Short  Circuit  Currait 
(Rl  =  0,  Ta  =  min  to  max) 

30 

30 

30 

mA 

Amplifier  Open  Loop  Gain  {f  =  50  Hz) 

7G 

70 

70 

dB 

INPUT  AMPUFTERS  (X,  Y  and  Z) ' 

Signal  Voltage  Range  (IXiX  or  CM 

±10 

±10 

±10 

V 

Operoting  DifI) 

±12 

±12 

±12 

V 

onset  Voltage  X,Y 

±5  ±20 

±2  ±10 

±2 

±10 

mV 

OfEwiC  Voltage  Drift  X.  Y 

100 

50 

30 

±10 

M.V/*C 

onset  VoIiageZ 

±5  ±30 

±2  ±15 

±2 

mV 

Of^t  Voltage  Drift  Z 

200 

lOO 

100 

pVf‘’C 

CMRR 

<0  80 

70  00 

70  90 

dB 

Bias  Cuettnr 

0.8  2.0 

0.8  2.0 

0.8 

2.0 

JtA 

onset  Correni 

0.1 

0.1 

0.05 

0.2 

jlA 

Differential  Rtaistance 

10 

10 

10 

ML 

DIVIDER  PERFOR.MANCB 

Transfer  Function  {X,  >  Xj) 

Total  Etrcr*  (X=  10  V,  -10  V  fiZa:+10  V) 

■ 

(X*=  IV.  -1  ViZS+!V) 

% 

(p.lVSXilOV,  lOVsZfilOVO 

% 

SQUARE  PERFORMANCE 

Transfer  Function 

Tom!  Enor  (-10  V  S  X  S  10  V) 

^^9 

■ 

% 

SQUARE-ROOTER  PERFORM.AKCE 

Transfer  Function  (Z|  £  Zq) 

^•0  y(Zi-z,)+X2 

^10  /(Zj-rij+Yj 

1  ^10t'(Z;-Z,)+X2 

Total  Error*  (IVSZSIOV) 

±1.0 

±0.5 

±0.25 

% 

POWER  SUPPLY  SPECIHC.'KTIONS 

Supply  Voltage 

Rated  Ferfoemsnee 

±15 

±15 

±15 

V 

Operating 

±8  ±18 

±8  ±18 

±8 

±18 

V 

Supply  Current 

Quiescent 

4  « 

4  « 

4 

4 

m.A 

PACKAGE  OPTIONS 

TO-lOO  (H-lOA) 

AD534JH 

AD534KH 

1  AD534UI 

TO-lHS(D-14) 

AD534JD 

An534KD 

AD534LD 

Gups 

AD534]  Chip* 

AD534K  Chipi 

1 _ 

NOTES 

'Kguics  ghrca  ire  perttat  of  full  jcjIc,  ±10V  (It.,  0  01^  =  1  mV). 

*Miy  bt  reduced  dowo  to  5  V  uiing  cmcimI  te«»wr  betweea  -Vj  ind  SF. 
*Inr^udbfe  compooeat  due  to  notilaiwity:  excludes  effect  of  o^co. 
*Us2Dg  exoemiil  resatoridjuxtcd  to  j»t  SF  =  3  V. 

*See  Fotjctionil  Block  Diigrem  for  deficirion  of  Kctioos, 

SpecJicitjoaa  subject  to  duape  without  notsct. 


^cGcidoci  shows  in  boldface  ire  tested  oa  all  producdoo  untu  it  ErsI  elecsricsl 
lest.  Results  £com  those  tests  are  used  to  cslcuUte  ontgoiag  quality  levels.  All  mm  and 
max  ^cefficauons  are  jniinniced.  although  oal>-  those  shown  in  boldface  are  tested 
on  all  produedon  units. 
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MUUriPUER  PERFORMAJS’CE 
Ttaosfer  Function 

Towl  Hiror^  (-10  V  i  X,  Y  ^  +10  V) 

Ta  -  min  to  iR« 

Total  B:JX»rv*.  Ten^eratuie 
Scale  Factor  Ettfit  , 

(SF  «  1 0.000  V  Nominal)* 

Temperature- Cocfncistit  of 
Scaling  Voltage  . 

Supply  Rejection  (±15  V±  IV) 
NonlinearJly,  X  <X  =  20  V  p-p,  Y  «  10  V) 
Nonlinearity,  Y  (Y  =  20  V  p-Pi  X  =:  10  V) 
Fecdthccush^X  or  Nulled, 

X  =  20Vo-p50H25 
FcedthrotijOt^,  Y  (X  Nulled, 
y~20Vp.p50H2) 

Output  OfEsci  Voltage 

Output  OfSe:  Voltage  Drift _ _ 


DYNAMICS 

Small  Signal  W  (Soar  -  I  nns) 

1%  Aoplitude  Error  (Cload  ~  1200  pF> 
Sjew  Rate  (Volt  20  p-p) 

ScnliilgTlmc  (to  1%,  AVotrr  =  20  V) 


NOISE 

Noise  SpccOBl-Densiiy  SF  ~  lOV 
SF=3V< 

Wideband  Noise  :=  lO  Efe  to  5  MHz 
r  -  10  Hz  to  10  kHz 


ooTPxrr 

Output  Volotgc  Swing 
Gu^ut  Impedance  (£&  1  ktlz) 

Output  Short  Circuit  Cuirect 

(Rl  ~  Ot  'Fa  ®  “'®') 

Amplifier  Open  Loop  Gain  (i-  50  Hz) 


INPtrr  AMPLIFIERS  (X,  Y  and  2)* 
Sigaal  Voltage  Ranjfte  (DiE.  or  CM 

Opcttdng  Difr.) 

Ol&et  Voltage  X,Y 
Ofbet  Voltage  Drift  X,  Y 
Offset  S’oltsgc  7. 

Offjct  Voltage  Drift  2 
CMRR 
Bias  Cucrctit 
Gffiicc  Current 
'  Diffbrent&i]  Resistnoce 


DIVIDER  PERFORMANCE 
Transfer  Ftmcrioc  (Xj  >  Xa) 

Toad  Error*  (X  -  10  V,  -10  V  a:  2i  +i0  V) 
CX»^lV,-lVSZ5flV) 

_ _ (0.1  Vi;X5tl0V,-10VgZg  10  \0 


SQUARE  PERFORMANCE 
Transfer  Funcrior. 

Total  Error  C-10  VS  Xa:  IS  V) 


SQUARE-ROOTER  PERFORMANCE 
Transfer  Function  (Zi  SZj) 

total  Eixbr*  (1 V  tg  Z  g  10  V) _ 


POWER  SUPPLY  SPHCIFTCATIONS 
Supply  Voltage 
Rated  Pecfonriaace 
CV«*nicg 
Supply  Current 
Quiescent 


PACKAGE  OPTIONS 
TO-lOO  (H-lOA) 
TO-U6(D-14) 
E-20A 
Chips 


AD534$ 

Typ  Max 


to  V* 


±1.0 

±2.0 

±0.02 


±0.25 

±0.02 

±0.01 

±0.4 

±0.2 

±0.3 

±0.01 

±5 


±30 

500 


1 

50 

20 


0.8 

0.4 

1.0 

90 


±11 


C.l 

30 


±10 

±12 

±5 

ICO 

±5 

SO 

o.s 

0.1 

10 


±30 

500 


±0.75 

±2.0 

±2.3 


.10  y 


±0.6 


V20y(Za-Z,>+Xi 

±1.0 


±i5 

4 


±22 

< 


AD534SH 
AD534SD 
AD534SE 
AD534S  Chipi 


AD534r 
Typ _ Max 


101/  * 


±1.0 

±0.3 


±0.01 

±0.2 

±0,i 


±0.01 

±2 


±0.5 

±0.01 


±0.3 

±0.1 


±0.1 

'±15 

300 


50 

20 


0,8 

0.4 

1.0 

90 


30 

•70 


±10 

±12 

±2 

150 

±2 

50 

0.8 

0.1 

to 


±15 

300 


±0.35 

±1.0 

±1.0 


OiizIiL 


+z. 


^10P(2.-Zt)  +  Aj 

±0.5 


±15 

4 


±22 

« 


AD534TH 
.AD534TD 
AD534TE 
AP534T  Chips 


% 

% 

%/“c: 


% 

% 


% 

mV 

UV/^C 


jiVAi-lz 

jiV/VHz 

mV/rms 

jlVto 


mA 

dB 


V 

V 

roV 

liY/*C 

mV 

p.V/*C 

dB 

M 

JtA 

Mil 


..NOTES' 

^Figures  izveo  are  percent  of  full  scale,  ±  SO  V  *  1  mV). 

?May  be  fcduo^  down  to  3  V  usbg  eniemal  reristbr  between  -V,  imd  SF. 
^Jntduciblc  eoajpoaent  due  m  oonloieiriij';  exclude*  efect  of  offteit. 

:  *Uj&g  external  rcsitmr  adjusted  to  gire  SF  -  3  V. .  . 

Funcdonil  Block  Diagtam  for  definition  ofaeccions. 

SperiScations  sal^ect  to  Change  without  notice. 
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SpedScatiocur  shown  in  boldfiae*  am  tesbedon  all  production  units  at  final  eSectrica! 
teat.  RcauUs  from  those  tmt  ate  uacd  to  ealcuUte  outgoing.qiuOiiy  kvds.  Ali  min  and 
apedficaciozM  are  jptarasteed,  altbou^  only  those  shown  m  bdld&ce  are  tested 
on  all  prodoedon  units. 
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CHEP  DIMENSIONS  AND  BONDING  DIAGRAM 


Thermal  Resistance  6jc  =  25®C/W  for  H-lOA 
6,a=  150®O’WforH-10A 

=  25*C/W  for  D- 1 4  or  E>20A 
^  =  95^CfW  for  D-1 4  or  F^20A 


ABSOLUTE  MAXIMUM  RATINGS 


ADS34J,  K,  L 

AD534S,T 

.Supph'  Voltage 

±1«V 

±22V 

Internal  Power  Dasipador. 

500  mW 

* 

Output  Short-Circuit  to  Ground 

Indefinite 

♦ 

Input  Voltage,  Xi  X;  Y,  Yj  Z,  Z, 

* 

Rated  Operating  Tcrr^craturc  Range 

0*C  to  +70*C 

-65»C  to 
+  125’C 

Storage  Temperature  Range 

-65*C  to  +I50*C 

* 

l.ead  Temperature  Range,  60  a  Soldering 

+300-C 

* 

<Sanica*AD53<JSpcc5. 


OPTIONAL  TRIMMING  CONFIGURATION 


V  470k 


TO  APPROPRIATE 
INPUT 'nERMNAL 


ORDERING  GUIDE 


Model 

Temperature 

Range 

Package 

Description 

Package 

Option 

AD534iD 

0»C  to  4-70*C 

Side  Brazed  DIP 

D-14 

AD534KD 

0*C  to  +70"C 

Side  Brazed  DIP 

D-14 

AD534LD 

0“C  to  +70“C 

Side  Brazed  DTP 

D-14 

AD534JH 

O^C.to  +70“C 

Header 

H-lOA 

AD534KH 

O’C  to  +700C 

Header 

H-lOA 

AD534LH 

0*C  to  +70*C 

Header 

H-IOA 

AD534JChip 

0“C  to  +70*C 

Chip 

AD534K  Chip 

O'^C  to  +70'’C 

Chip 

AD534SD 

-55*C  eo+125“C 

Side  Brazed  DIP 

D-14 

AD534SD/883B 

-55*Cto+125'»C 

Side  Brazed  DIP 

D-14 

AD534TO 

-55*Cto+]25*C 

Side  Brazed  DIP 

D-H 

AD534TD/883B' 

-55*Cto+125*C 

Side  Brazed  DIP 

D-14 

JM38510/13902BCA 

-55*Cto+!25*C 

Side  Brazed  DIP 

D-14 

JM38510/13901BCA 

-55*Cto+I25*C 

Side  Brazed  DIP 

D-H 

AD534SE 

-55‘'C:to  +  125*C  i 

IXC 

E-20A 

AD534SE/'883B 

-55«Cto  +  125*C  ! 

LCC 

E-20A 

AD534TB 

-ss^cto+ias^c  1 

Lee 

E-20A 

AD534TE/883B 

-^5*C  to+125'C 

LCC 

E-20A 

AD534SH 

-55"Cto+125*C 

Header 

H-lOA 

AD534SH/883B 

-55*Cto+125«C 

Header 

H-lOA 

AD534TH 

-55®Cto+125«C 

Header 

H-lOA 

AD534TH/883B 

-55®Cto+I25»C 

Header 

H-lOA 

JM38510/13902BLA 

-55*Gto+125*C 

Header 

H-lOA 

JM385 10/1 390 IBIA 

-55*Cto+125®C 

Header 

H-lOA 

•AD534S  Chip 

-55*Cto+l25*C 

Chip 

AD534T  Chip 

~55*C  to  +125*^0 

Chip 

CAUTION 


ESD  (electrostatic  discharge)  scositivx  device.  Electrostatic  charges  as  high  as  4000  V  readily 
accumulate  on  the  human  body  and  test  equipment  and  can  discharge  without  detection. 
Although  the  AD534  features  proprietary  ESD  protection  circuitry,  permanent  damage  may 
occur  on  devices  subjected  to  high  energy  electrostatic  discharges.  Therefore,  proper  ESD 
preoiuttoos  are  recommended  to  avoid  performance  degradation  or  loss  of  functionality. 


WARNING! 
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FUNCTIONAL  DESCRIPTION 

Bgure  1  is  a  functional  block  diagram  of  the  AD534.  Inputs  arc 
converted  to  differeniial  currents  by  three  identical  voltage-tb- 
current  converters,  each  trimmed  for  zero  oSact,  The  produa. 
of  ibe  X  and  Y  currents  is  generated  by  a  multiplier  cell  using 
Gilbert’s  translinear  technique.  An  on-ch^  “Buried  Zener” 

:  provides  a  highly  stable  reference,  whidi  is  laser  trimmed  to 
provide  an  overall  scale  factor  of  10  V.  The  difference  between 
;  XY/SF  and  Z  is  then  ^lied  to  thehigii  gain  output  amplifier. 
This  permits  various  closed  loop  configurations  and  dramati¬ 
cally  reduces  ndnlinearities  due  to  the  input  amplifiers,  a  domi- 
-nant  source  of  distortion  in  earlier  designs.  The  effectiveness  of 
the  new  scheme  can  be  fudged  from  ihe  fact  that  under  typical 
conditions  as  a  multiplier  the  nonlinearity  on  the  Y  input  with 
X  at  full  scale  (±10  V),  is  ±0.005%  of  F.S.;  even  at  its  worst 
point,  which  occurs  when  X  =  ±6.4  V,  it  is  tjpically  only 
±0.05%  ofF.S.  Nonlinearity  for  signals  applied  to  the  X  input, 
on  the  other  band,  is  deiertnined  almost  entirely  by  the  multi¬ 
plier  dement  and  is  parabolic  in  form.  This  error  is  a  major  fac¬ 
tor  in  determinmg  The  overall  accuracy  of  the  unit  and  hence  is 
closely  related  to  die  device  grade. 


Figure  1.  ADS34  Functional  Bhck  Diagram 
TTie  generalized  transfer  jtuhetion  for  the  AD534  is  given  by; 


where  A  ~  open  loop  ^in  of  output  amplifier,  ^ically 
70  dB  aide 

Xy  Y,  Z  =  input  voltages  (full  scale  =  ±SF,  peak  = 

±1.25  SF) 

SF  =  scale  factor,  pretrimmed  to. 10.00  V  but  adjustable 
by  the  user  down  to  3  V. 

In  most  cases  the  open  loqp  gain  can  be  regarded  as  infinite, 
and  SF  will  be  10  V.  The  operation  perfortned  by  the  AD534, 
can  then  be  desdibed  in  terms  of  equation: 

(^,  -  -  n)  - 10  K  (Zj  -  Z^) 


AD534 


The  user  may  adjust  SF  for  values  between  10.00  V  and  3  V  by 
connecting  an  external  resistor  in  series  with  a  potentiometer 
bettt'een  SF  and  The  approximate  value  of  the  total  resis¬ 
tance  for  a  given  value  of  SF  is  given  by  die  relationship: 

Due  to  device  tolerances,  allowance  diould  be  made  to  vary  Rsp; 
by  ±25%  using  the  potentiometer.  Considerable  reduction  in 
bias  currents,  noise  and  drift  can  be  adneved  by  decreasing  SF. 
This  has  the  overall  effect  of  incrcafung  signal  gain  without  the 
customary  increase  in  noise.  Note  that  the  peak  input  s^al  is 
always  limited  to  1.25  SF  (i.c.,  ±5  V  for  SF  =  4  V)  so  the  overall 
transfer  function  will  show  a  maximum  gain  of  1 ,25.  'Fhc  per¬ 
formance  with  small  input  signals,  however,  is  improved  by  us¬ 
ing  a  lower  SF  since  the  dynamic  range  of  the  inputs  is  now  fully 
utilized.  Bandwidth  is  unaffected  by  the  use  of  this  option. 

Supply  voltages  oft  15  V  are  generally  assumed.  However,  satis¬ 
factory  operation  is  possible  down  to  ±8  V  (see  curve  1).  Since 
all  inputs  maintain  a  constant  peak  input  capability  of±1.25  SF 
some  feedback  attenuation  will  be  necessary  to  achieve  output 
voltage  swings  in  excess  of  ±12  V  when  using  higher  supply  volt¬ 
ages. 

OPERATION  AS  A  MULTIPLIER 

Figure  2  shows  the  basic  connection  for  multiplication.  Note 

that  the  dreuit  will  meet  all  specifications  wthout  trimming. 


In  some  cases  the  user  may  wish  to  reduce  ac  feedtiirough  to  a 
mininjum  (as  in  a  suppressed  carrier  modulator)  by  applying  an 
external  trim  voltage  Ct  30  mV  range  required)  to  foe  X  or  Y  in¬ 
put  (sec  Optional  Trimming  Configuration,  page  3).  Curve  4 
shows  the  typical  ac  feedthrou^  with  this  adjustment  mode. 
Note  that  foe  Y  input  is  a  factor  of  1 0  lower  than  the  X  input 
and  should  be  used  in  applications  where  null  suppression  is 
critical. 


Thchi^  impedance  Zs  terminal  of  foe  AD534  may  be  used  to 
sum  an  additional  signal  into  foe  output.  In  this  mode  the  out¬ 
put  amplifier  behaves  as  a  voltage  follower  wifo  a  1  MHz  small 
signal  bandwidth  and  a  20y/jis  slew  rate.  This  terminal  should 
always  be  referenced  to  the  ground  pdnt  of  the  driven  system, 
particulariy  if  this  is  remote,  likewise  foe  differential  inputs 
should  be  referenced  to  their  respective  ground  potentials  to  re¬ 
alize  foe  full  accuracy  of  foe  AD534. 
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A  much  lower  scaling  voltage  can  be  achic/cd  without  any  re¬ 
duction  of  input  signal  range  using  a  feedback  attenuator  as 
shown  in  Figure  3.  In  this  example,  the  scale  is  such  that  Vqui 
=  XY,  so  diat  the  circuit  can  exhibit  a  maximum  gain  of  10. 
This  connection  results  in  a  reduction  of  bandwidth  to  about 
80  kHx  widiout  the  peaking  capacitor  Cp  =  200  pF.  In  addition, 
the  output  oflfeet  voltage  is  increased  by  a  factor  of  10  making 
external  ad)ustmcnts  necessary'  in  some  applications,  Adfust- 
ment  is  made  by  connecting  a  4.7  MSI  resistor  between  Zt  and 
the  slider  of  a  pot  connected  across  die  supplies  to  provide 
±300  mV  of  tdm  range  at  the  output. 


OUTPUT,  *12V  PK 

(SCALE*  IV) 

OPTIONAL 
PEAKING 
CAPACtTOB 
CF  =  2a>pF 


Figure  3.  Connections  for  Scale^Factor  of  Unity 


Feedback  attenuation  also  retains  the  capability  for  adding  a 
signal  to  the  output.  Signals  may  be  applied  to  the  high  imped¬ 
ance  Zi  terminal  whL*re  they  are  amplified  by  +10  or  to  the  com¬ 
mon  ground  connection  where  they  are  amplified  by  +1 .  Input 
signals  may  also  be  applied  to  the  louver  end  of  the  1 0  kO  resis¬ 
tor,  giving  a  gain  of -0.  Other  values  of  feedback  ratio,  up  to 
XI 00,  can  be  used  to  combine  multiplication  with  gain. 

Occasionally  it  may  be  desirable  to  convert  the  output  to  a  cur¬ 
rent,  into  a  load  of  uni^ecificd  impedance  or  dc  level.  For  ex¬ 
ample,  the  function  of  multiplication,  is  sometimes  followed  by 
integration;  if  the  output  is  in  the  form  of  a  current,  a  simple  ca¬ 
pacitor  will  provide  the  integration  funaion.  Figure  4  shows 
how  this  can  be  achieved.  This  method  can  also  be  applied  in 
squaring,  dividing  and  square  rooting  modes  by  appropriate 
choice  of  terminals.  'Hiis  technique  is  used  in  the  voltage- 
controlled  low-pass  filter  and  the  differential -input  voltagc-to- 
frequency  converter  shown  in  the  Applicarions  Section. 


Figure  4.  Conversion  of  Output  to  Current 


OPERATION  AS  A  SQU ARER 

Operation  as  a  squarer  is  achieved  in  the  same  fashion  as  the 
multiplier  except  that  the  X  and  Y  inputs  arc  used  in  parallel. 
The  differentia]  inputs  can  be  used  to  determine  the  output  po¬ 
larity  (positive  for  X]  =  Yi  and  X2  =  Yi,  negative  if  either  one  of 
the  inputs  is  reversed).  Accuracy  in  the  squaring  mode  is  typi¬ 
cally'  a  faaor  of  2  better  than  in  the  multiplying  mode,  the  larg¬ 
est  errors  occurring  with  small  values  of  output  for  input  below 
IV. 

If  the  application  depends  on  accurate  operation  ftrr  inputs  dtat 
arc  always  less  than  ±3  V,  die  use  of  a  reduced  value  of  SF  is 
recommended  as  described  in  thcFUNdlOXAL  DESCRIP¬ 
TION  section  (previous  page).  Alternatively,  a  feedback  attenu¬ 
ator  may  be  used  to  raise  the  output  level.  TTiis  is  put  to  use  in 
the  difference-of-squares  application  to  compensate  for  the  fac¬ 
tor  of  2  loss  involv^  in  generating  the  sum  term  (see  Figure  7). 

ITic  dilTcrence-of-squarcs  function  is  also  used  as  the  basis  for  a 
novel  rms-to-dc  converter  shown  in  Figure  14.  Tne  averaging 
filter  is  a  true  integrator,  and  the  loop  seeks  to  zero  its  input. 

For  this  to  occur,  (Vj^)^  -  (for  signals  whose  period 

is  well  below  the  averaging  time-constant)  Hence  Vqut  ts  forced 
to  equal  the  rms  value  of  Vcv-.  The  absolute  accuracy  of  this 
technique  is  very'  high;  at  medium  frequencies,  and  for  signals 
near  full  scale,  it  is  determined  almost  entirely  by  the  ratio  of  the 
resistors  in  the  inverting  amplifier.  'JTbe  multiplier  scaling  volt¬ 
age  alfeas  only  open  loop  gain.  The  data  shown  is  typical  of 
performance  that  can  be  achieved  with  an  .AD534K,  but  even 
using  an  AD534J,  this  technique  can  readily  provide  better  than 
1%  accuracy  over  a  wide  frequency  range,  even  for  crcst-facrors 
in  excess  of  1 0. 
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OPERATION  AS  A  DIVIDER 

The  AD535,  a  pin  for  pin  functional  cqui^-aicnt  to  the  AD534, 
has  guaranteed  performance  in  the  divider  and  square-rooter 
configurations  and  is  recommended  for  sudi  applications. 

Figure  5  shows  die  connection  required  for  efivision.  Unlike  ear¬ 
lier  products,  the  AD534  provides  dijBfercntial  operation  on  both 
numerator  and  denominator,  allowing  the  ratio  of  two  floating 
:  variables  to  be  gcneratcdl  Further  fi«dbility  results  from  access 
to  a  high  impedance  summing  input  to  Yj.  As  with  all  dividers 
based  on  die  use  of  a  multiplier  in  a  feedback  loop,  the  band- 
widdi  is  proportional  to  the  denominator  magnitude,  as  shown 
inemveS, 
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■  ±10VPS,i:12VPK 


*  Figure  5.  Sasic  Divider  Conneefion 

Without  additional  trimming,  the  accuracy  of  the  AD534K 
and  L  is  sufficient  to  maintain  a  1%  error  over  a  lOV  to  1  V 
denominator  range.  This  range  may  be  extended  to  100:1  by 
simply  reducing  the  X  offset  with  an  externally  generated  trim 
voltage  (range  required  is  ±3.5  mV  max)  applied  to  the  unused 
X  input  (see  Optional  Trimming  Gonfiguration).  To  trim,  apply 
a  ramp  of +100  mV  to  +V  at  100  Hz  to  bofo  Xi  and  Zj  (if  Xj  is 
used  for  Offset  ad justment,  otherwise  reverse  the  signal  polarity) 
and  adjust  the  trim  voltage  to  minimize  the  variation  in  the 
output* 

Since  ihc  output  will  be  near  +10  V,  it  should  be  ac-coupled  for 
tills  adjustment.  The  increase  in  noise  level  arid  reduction  in 
bandwidth  preclude  operation  muthi  beyond  a  ratio  of  100  to  1. 
As  with  the  multiplier  connection,  overall  gain  can  be  intro¬ 
duced  by  inserting  a  simple  attenuator  between  die  output  and 
Yj  terminal.  This  eption,  and  tiie  differential-ratio  capability  of 
the  AD534  are  utilized  in  the  pcfcentage-computcr  application 
shown  in  Figure  11.  This  configuration  generates  an  output  pro¬ 
portional  to  the  ptarcentage  deviation  of  one  variable  (A)  with  re¬ 
spect to  a  reference  variable  (B),  with  a  scale  of  one  volt  per 
percent. 


_  1 

OPERATION  AS  A  SQUARE  ROOTER 
The  operation  of  the  AD534  in  the  square  root  mode  is  shown 
in  Figure  6.  The  diode  prevents  a  latching  condition  which 
could  occur  if  the  input  momentarily  changes  polarity.  As 
^own,  the  output  is  always  positive;  it  may  be  changed  to  a 
negative  output  by  reversing  tiie  diode  direction  and  interchang¬ 
ing  the  X  inputs.  Since  the  signal  input  is  diffemntial,  all  combi¬ 
nations  of  input  and  output  polarities  can  be  realized,  but 
operation  is  restricted  to  the  one  quadrant  associated  with  eadh 
combination  of  iiqiuts. 


OUIPOT,  ±iav  PK 


=VlOV<Z,-Z,>  +X8 


In  contrast  to  earlier  devices,  which  were  intolerant  of  capacitive 
loads  in  the  square  root  modes,  tiie  .4kD534  is  stable  with  all 
loads  up  to  at  least  1000  pF.  For  critical  applications,  a  small 
adjustment  to  the  Z  input  offset  (see  Optional  Trimming  Con¬ 
figuration)  will  improve  accuracy  for  inputs  below  1  V. 

*Sec  the  AD535  Data-  Sheet  for  more  details. 
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AD534-Applications  Section 

The  versatility  of  the  ADS  34  allows  the  creative  designer  to 
implement  a  variety  of  circuits  such  as  wattmeters,  frequency 
doublers  and  automatic  gain  controls  to  name  but  a  few. 


MOTES:  1>  OWN  tS  X 10  PER-VOLT  OF  Eo  ZERO  TO  X  SO 

2)  WIOEBAHO  (lOHz  Oim»Ur  NOISE  tSSniV  RMS,  TYP 

COftfteSPOMDINO  TOAF,&8mRAT)OOF7<M8 

3)  NOtSE  REFERED  TO  SIGNAL  INPUT,  WTO  £c  «  IS  COpV  RMS,  TYP 

4)  aANDWrmiSDCTOaOkHz.’^.INOEPENDEKTOFGAIN 

Figure  8.  l/d/fa^e-Co/rtro/Zcc/  Amplifier 


U3WQCL05ETOLERANCE  RESISTORS  AND  AE»34L,  ACCURACY 
OF  FiriS  WTHW  AT  AU.  POWTS.  OIS  W  RADIANS. 


Figure  9.  Sine-Function  Generator 
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THE  SF  PIN  OR  A  ^ATTE^IUATOR  CAN  BE  USED  TO  PROVIDE  OVERALL  SIGNAL 
AUPURCATION,  OPERATION  FROM  A  SINGLE  SUPPLY  POSSIBLE:  BIAS  Yj  TO 

figure  10.  Linear  AM  Modulator 


OTHER  SCALES,  FROM  10%  PER  VOLT  TO  0.1%  PER  VOLT  CAN  BE  OBTAINED 
BY  ALTERING  T)^  FEEDBACK  RATIO. 

Figure  1 1.  Percentage  Computer 


Figure  12.  Bridge-Linearization  Function 
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»1SV 


VWTH  Ecs  1J6V,  ADJU&T  POTTO  »rr  I  slJOOOkHx,  WITH  Eq  e®>OV«JUBT 
11WMER  CAPACnOR  TO  SET  f  .  « UHE/UarV  WtUL  TYWCALLV  BE 
wmm  ai%  OF  F.S.  FOR  AhM  OTMER  INPUT. 

DUE  TO  DELAYS  IN  mfi  COMPARATOR;  TH»  TECKMQUE  IS  NOT  SUITABLE 
FOR  MAMIIUW  FREOUENCiED  ABOVE  lOtiKL  FOR  FREOUENaEB  WOVE 
lOMH*  THE  AOeST  VOLTAGE  TO  FREOUENCY  CONVCTTTER  «  RECOHMENOEO. 

A  THIANOLE  -WAVE  OF  iSV  PK  APPEARS  ACROSS  THE  OOljl^  CAPACirOft;  IF 
USED  AS  AN  OUTPUT,  A  VOLTAGE-  POUCWER  SHOULD  BE  INTERPOSED. 

figure  13.  DifferentiaNnput  Voltage-io-frequency  Converter 


MATCKED  TO  0J»S% 


WITH  ’*WOE'  SWITCH  IKWR*  DC  WJSITIOI^  APIH.Y  AH«^  OF  +1.MV0C. 
ADJtiSTZERO  UHTItOUTPVr  REAOS  SAUEASINPUT.  CHECK  FOR  INPUTS 
OFStOV;  OUTPUT  SHOULD  Se  WITHN  iftSSSISmV). 

ACCURACr  m  UMNITMNED  TO  TOOKH:;  AW  »  TmCsaY  HIQH 

BY  as%  AT  lilBtt  FOR  Vm  »  4V  IMS  ISIK£,  8CHJARE  OR  T»ANGUUU|.WAVE]. 

PjROVIDED  tfMT  THE  PI^  INPUT  IS  NOT  EXCEED^,  CREST-FACTORS  UP 
TO  AT  LEAST  TEN  HAVE  NO  APPREOKBLE  EFFECT  ON  ACOJR^ . 

MPUr  I1R»B>MIC£  IS  ABOUT  ibWi;  FOR  HMlHCloilO)  IMPEDANCE  REMOVE 
MOOESWITCH  AND  INPUT  CDUPUNQ  COMPONENTS. 

FOR  GUARANTEED  SPEORCATIONS  THE  AD53M  AND  A0C3S  IS  OFFERED  AS 
ASINGLEPACKAGERMS-TO-DC  CONVERTER. 


Figure  14,  Wideband,  High^Crest  Factor,  8MS-to-DC  Converter 
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AD534-Typical  Performance  Curves  (typica!  at  VfiXh  Vs  =±1SV  dc,  unless  otherwise  noted) 


PoanWE  OR  NEGATIVE  SUPPtY  -  Votfc  FREQUENCY  -  Ht 

Curve  7.  input/Output  Signal  Range  vs.  Supply  Voltages  Curve  4.  AC  Feedthrough  vs.  Frequency 


TEMPERATURE -*0 


Curve  2.  Bias  Currents  vs.  Temperature  {X,  Y  or  Z  Inputs) 


FREQUENCY -H2 

Curve  5.  Noise  Spectral  Density  vs.  Frequency 
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